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1. Voice Workshop Description
Development platform Introduction and Software Installation

Characteristics

The Holtek Voice Workshop is a software development platform for Voice MCU product
development. Using a simple graphical user interface, it allows users to easily integrate the project
code with their audio files and complete their audio product designs in an easy and efficient manner.
The code will be automatically generated and stored in a voice MCU in a certain format with the

compressed audio files stored in external Flash.

System Requirements

Windows 7 or higher version.

System Configuration
The complete system has both software and hardware components:
* S/W: Voice Workshop
* H/W: ESK-FV160-200 Development Board / ESK-66FV-100 EV board
+ e-Link — user provided

+ Speaker for broadcasting — user provided

Rev. 2.70 4 June 09, 2025
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S/W Installation

Stepl. Double-click on the install icon Yoicetter and the following screen will appear:

Tinstall.ex
e

& Setup - Voice Workshop version 2.6.1 — x

Select Additional Tasks

Which additional tasks should be performed?

Select the additional tasks you would like Setup to perform while installing Voice
Workshop, then dick Next.

Additional shortouts:
| [] create a desktop shortout

Add a desktop shortcut or not ?

Step2. Click the “Next” button and the following screen will appear:

i,

Ready to Install
Setup is now ready to begin installing Voice Workshop on your computer,

Click Install to continue with the installation, or dick Back if you want to review ar
change any settings.

Additional tasks:
Additional shortcuts:
Create a desktop shortcut

Back Install Cancel

Rev. 2.70 5 June 09, 2025
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Step3. Click “Install” to continue with the installation.

& Setup - Voice Workshop version 2.6.1 — >

Installing
Flease wait while Setup installs Voice Workshop on your computer,

Extracting files...
C:\...\AppData'Local\Temps-9TEKS. tmp\WoiceMCUWorkshopLitey 1.0, 0Install. exe

Cancel

Step4. Press the “Finish” button to finish the setup.

Completing the Voice Workshop
Setup Wizard

Setup has finished installing Yoice Workshop on your
computer. The application may be launched by selecting the
installed shortcuts.

Click Finish to exit Setup.

| Launch Install sudacity.exe
Install the Audacity Audio Editor or not ?

Voice Workshop User Guide
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S/W Operation Quick Start

Start the Voice Workshop

Double-click the “Holtek Voice Workshop™ icon, the following screen will appear:

New Project Load Project Save Project | [Save New Project]

Basic Sefting

Voice Program

HDLTEK#

Create a New Project

Professional Mode:

Stepl. Select "New Project" to create a new project

P

(=]=]

New Project Load Project Save Project | Save New Project]

Step2. In the New Project setting window, enter the project name, project path and project mode in
the "Project Name", "Project Path", and "Select project mode" respectively, as shown below.

Mew Project X

Project Name:

‘HTEEF\MEU

Project Path:

‘CZ\VU\CEWD[kShUp J

Select project mode:

‘F'rufessiuna\ Mode (user code + library) j

I e g (ESK-FV160-200)

|HresFv130 -
[” Peripheral Function & o
|HTs6FV130 -]

Rev. 2.70 7 June 09, 2025
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Step3. Click “OK” and then a window which has three optional pages on the left will appear. The

Basic Setting page includes “Mode Selection” in which we have selected the Professional

Mode, “Available Function” and “Available MCU” selection boxes, as shown below.

HTB6FV160

Mode Selection

f Professional Mode
(user code + library)

Project Name:

Hint: You may choose available
functions first, then doing advance

Basic Settin
2 seftings on the right side!

Available Function
Voice Program

Finish

Voice
Source

Speaker
Driver

HDLTEK#

New Project

N Y

Available MCU]

Load Project Save

=/

HTE6FV140 | HTGEFV130 | HTGEFV150 | HTGEFYV160
BS66FV340 | BSEEFV350 | BSBBFV3IE0 | HT45F65

HT45F67 | HT45F23A | HT45F24A = HT45F3W

HTBEF4550 | BA4SF5250  BA4SF5260 | BA4SF5750

MCU Resource:

The screen shows the largest MCU package which is
compatible with all MCU packages

ew Project

(51

Step4. If an MCU has been selected, then the MCU related information including the MCU pins and

internal resources that can be used by the available functions are displayed as shown in the

following figure.

(6]
Project Name: | HTBG6FV160 New Project Load Project Save Project | Save New Project|
Mode Selection =/ 2
P3| 1
& Professional Mode
(user code + library) pet) 2
Hint: You may choose available P2 3
Basic Setting functions first, then doing advance
settings on the right side! Pc3| 4
Available Function Pc4| 5
Voice Program
FCS| &
FCs| 7
Finish External
Flash PC7| 8
Available MCU: | |Page1
reo| & || HTBBFV140 | HTB6FV130 | HT66FY150| HTBEFV160 EPEE
BS66FV340 | BSEGFVIS0 | BSBEFV3E | HT45FG5
OCDSCK| 10
Speaker Voice [ HT45F67 | HT45F23A | HT45F24A | HT45F3W
Driver Source
0cDSDA| 11 | | HTE6F4550 | BA4SF5250 | BAASF5260 | BA4SF5750
7| 12 |LMCU Resource]
ROM: 16K x 16bits RAM: 1024 x 8bits
FDS| 13
Package[44.GFP-A | Timer. 10bits¥4; 16bitsX1
PDS| 14 D/A: 16bits x 1 PWM: 0
P4 15
Reserved &l
The screen shows the largest MCU package which is
HnLTEK‘#’ compatible with all MCU packages

Note: Right-click the mouse button, select the MCU frequency, as shown below.

Rev. 2.70
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HOLTEK

Project Name: | HTB6FV160

Mode Selection

@ Professional Mode
(user code + library)

Hint: You may choose available

functions first, then doing advance
seftings on the right side!

Available Function

=) @

Basic Setting

Voice Program

Finish External
Flash
Speaker Voice

Driver Source

HCILTEK#

New Project Load Project

]

1]
0

Bl

PCS

=
PBO HTE6FV140  HTEBFV130  HTEEFV150 | HTEEFV160

<]
’ Available MCU:
-]

BS66FV340  BSB6FV350 BSBEFV3B0  HT45F65
uwsu(
HT45F67 | HT45F23A | HT45F24A | HT45F3W

HTB6F4550  BA45F5250  BA45F5260 BA45F5750

0CDSD/

MCU Resource:
ROM: 16K x 16bits RAM: 1024 x 8bits

Package:[¢4LQFP-A | Timer: 10bitsX; 16bitsX1

D/A: 16bits x 1 PWM: 0

Save Project | Save New Project

GPIO- 35 Freq - [hHz  v]
PD4|E|
Reserved

18 MHz.
112 MHz

The screen shows the largest MCU package which
compatible with all MCU packages

StepS. Use and setup the three available functions:

» External Flash Function:

+ Click the “External Flash” button to load/remove the function to/from the MCU.

+ Click the “External Flash” icon in the MCU block on the right to select the Flash size, as shown

below:
o
Project Name: | HTEBFV160 New Project Load Project Save Project | Save New Project| Jial
Mode Selection -
PA?:D
& Professional Mode
(user code + library)
Hint: You may choose available
Basic Sefting functions first, then doing advance
settings on the right side!
Available Function 4096K x Bbits |~
Voice Program 16384K x Bbits
C] 8192K x 8bits
[2048K x 8bits
Finish External 1024K x 8bits
Key ash 512K x Bbits
’ v 150 | HTG6FV160 IEIPEE
BSB6FV340 | BSGOFV350 | BSGGFV3B0 | HT45FGS
Speaker Voice HT4SF67 | HT4SF23A | HTASF24A | HT4SF3W
Driver Source
HTB6F4550 | BA4SF5250 | BA4SF5260 | BASFS750
MCU Resource:
ROM: 16K x 16bits RAM: 1024 x 8bits
Package[44L0FP-A v |Timer 10bitsXd: 165itsX1
D/A- 16bits x 1 PWM: 0
GPIO: 35 Freq -
Reserved J
The screen shows the largest MCU package which is
ch_rsm# compatible with all MICU packages

Rev. 2.70
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 Speaker Driven Function:

+ Click the “Speaker Driven” button to load/remove the function to/from the MCU.

+ Click the “Speaker Driven” icon in the MCU block on the right to setup the driver mode. At the
present time only the DAC output mode is supported as shown below:

Project Name:  HT66FV160

Mode Selection

& Professional Mode
(user code + library)
Hint: You may choose available

functions first, then doing advance
settings on the right side!

Available Function

Basic Sefting

Voice Program

External

Finish Key Flash

Speaker Voice
Driver Source

i

New Project Save New Project| Jia

Load Project

Save Project

Speaker: [DAC ~

Available MCU:
HTBEFV40 | HTBEFV130 | HTB6FV150 | HTBEFV180 EIPEE
BSG6FV340 | BSGGFY3S0 | BSGGFV3E0 | HT4SFES

HT45F67 | HT45F23A | HT45F24A | HT45F3W
HTBBF4550 | BA4SF5250 | BAASF5260 | BA4SFS7T50
MCU Resource:

ROM: 16K x 16bits RAM: 1024 x 8bits

Package [+4L0FP-A | Timer: 10itsX4; 16sits1

D/A: 16bits x 1 PWM: 0
GPIO- 36 Freq.
Reserved
=
The screen shows the largest MCU package.which is
— compatible with all MCU packages
» Voice Source Function
M 13 M tE] 3
(D Click the “Voice Source” button to load/remove the function to/from the MCU.
i
Project Name: | HTB6FV160 New Project Load Project Save Project | Save New Project] il
Mode Selection -
& Professional Mode
(user code + library)
Hint: You may choose available
Basic Setting functions first, then doing advance
settings on the right side!
Available Function
Voice Program
ini Exts |
Finish Key F\inha
Available MCU:
HTGEFV140 | HTBBFV130 | HTBEFV150 | HTBEFVA60 EPEE
BSE6FV340 | BSGEFV50 | BSGGFV3ED | HT45FE5
Speaker Voice HT4SFBT | HT4SF23A | HT45F24A | HT4SF3W
Driver ource
HTG6F4550 | BAASFS250 | BA4SF5260 | BASFSTS50
MCU Resource:
ROM: 16K x 16bits RAM: 1024 x Bbits
Package [44L0FP-A_ ~ | Timer. 10bitsXd: 16bitsX1
DFA- 1Bbits x 1 PWM: 0
GPIO- 36 Freq.
Reserved
=l
The screen shaws the largest MCU package which is
ch:rsx# compatible with all MCU packages
Rev. 2.70 10 June 09, 2025
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®) Click the “Voice Source” icon in the MCU block on the right to add or remove “.wav” files, as
shown below:

B) Voice Workshop [C:\VoiceWorkshop\ HTE6 — %
Project Name: | HTBBFV160 ‘ New Project ‘ | Load Project ‘ ‘ Save Project | bave New Frujecd a
Mode Selection =/
& Development board mode
PC1 43 PCO
Hint: You may choose available . . ‘2
Basic Setting functions first, then doing advance
@ Add (= Remove |supported voice format, | Waveform Editor || Resetall  [E3
+/- |Play | ™ML File Name Nickname Compression Mode | Original Voice Size |Encoded Voice Size
foicaiRoatan 2 A4 [ ¥ [[sound Efiect wav 0_Sound Effect  |HTuPCM3 148K Bytes 4K Bytes B
= 1 1L |
r & Open % —
Finish 4[] « Voice Workshop > BIN > DemoWAV v & Search DemoWAV s
Organize v Mew folder = W @ [
3 This PC A Name = Title Contributing artists ~ Album
B 3D Objects o] MCU.wav
1 Deskop 6] Sound Effectwav 1 Try Try Try Jason Mraz Try Try Try
Documents [8] Speechi(Chinese) wav
irD ond ] Welcome(Chinese)....
ownloads
D Music
& Pictures
B Videos
i, 05(C)
NATA (N i A2 = B4
File name: | MCUwav | |vice Fites wa) v =l
Open Cancel
HCILTEK#

(3 Before loading the voice source file, you can first click the “Waveform Editor” button to

connect to the “Audacity” Audio Editor to process the voice source file after which it can

be saved. Note: ensure that the Audacity software is installed, otherwise it must first be
downloaded from the website http://audacity.sourceforge.net/. Then refer to Audacity Quick
Start for the Audacity application details. After loading the file successfully, the “Total Memory

Size”, “Memory Size Used”, “Memory Size Left” information is displayed, as shown below.

Project Name:

Basic Setting

Voice Program

Finish

HDLTEK#

]
HT66FV160 ‘ New Project ‘ ‘ Load Project ‘ ‘ Save Project | Fave New Prnjecli
Mode Selection \_/
" Professional Mode
(user code + library) Fu PCD
Hint You may choose available . . - 42
functions first, then doing advance
@ Add =)- Remove ‘SUDDDneﬂvmte fnrmat‘” Waveform Editor || ResetALL ‘m
+/- |Play | ™ML File Name Nickname Compression Mode | Original Vioice Size |Encoded Voice Size
Ol A 4] ¥ Mcuwar 0_MCU HT-uPCM8 29K Bytes 15K Bytes =
3]
Total Memory Size: | 4096K Bytes Memory Size Used: 20K Bytes Memory Size Left: | 4076K Bytes
0CDSCK| 10 35 [Pe6
Speaker Voice HT45FE7 | HT45F23A | HT4SF24A | HTASFIW
Driver Source
UCDSDA PE7
P07 MCU Resource: pAS
ROM: 16K x 16bits RAM: 1024 x 8bits
P8 PAS
Package [#4L0FP-A v |Timer: 10bitsi4;16bitsX1
PO5| D/A: 16bits x 1 PWM: 0 PAT
GPID: 35 Freq. -
PD4| [Vss
Reserved
El
The screen shows the largest MCU package which is
compatible with all MCU packages

Note: For the maximum frequency limit for the added voice source, refer to the Voice Library
Establishment and Emulator.

Rev. 2.70
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@ In above @ , press “Open file” and a source setting dialog box, including voice source
information, compression mode setup, etc., appears. After these have been setup, click “OK”
to complete the voice source design. See the figure below.

Source Setting *
Source: |C:\F'r0gram Files (x86)\Holtek MCU Development Tools\Wc
Type: Wave
Mode: |HT-upCMms -

HT-ADPCM4
HT-PCM12
HT-PCM16

Step6. After completing the basic settings, switch to the voice program page as shown in the
following figure.

i
Project Name: | HTGBFV160 New Project Load Project Save Project | SBave New Project|
Voice Program List
Trigger Source Trigger Source Name Function
S b ]
N J
Basic Sefting
Voice Program
Finish
=]
A l
Available Trigger Source Available Function
G - | | —
Ht:n:l'EKC#>

Rev. 2.70 12 June 09, 2025
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Step7. According to the number of required trigger commands now arrange the program as shown

below:
Jis]
Project Name:  HTG66FV160 New Project Load Project Save Project | Save New Project| Jia
Voice Program List
Trigger Source Trigger Source Name Function
FTTTTT T ~ (=]
( Sentence 1 ] ‘Sentencm
N 2
Basic Settin 3 i
2 (¥:Add __ I=): Remove ResstALL B3
Rt Ty +/- | Order | Actu}‘\ Action Parameter
s B @ [ 1 [Playvoiced ~Jlo_mcu ~] 2|
(O] 2 Mue / w2000 ms
@ | 3 [Playveick# v |[2_SpeechiChinese) ~]| |}
Finish & | e
-
[ // El
5|
il ]
Available Trigger Source Available Function
x0
HDLTEK#

Step8. After finishing the voice program page setup, click “OK” and program the DAT file (audio
compressed file) into the Flash memory. The stored data then can be called in the same way
as the generated library under the professional mode and some related functions.

[T
Project Name: | HT66FV160 New Project Load Project Save Project | Save New Project
Basic Sefting
Voice Program
Process Finish! You can test your product now!
Finish
¥ $PI Flash data verification
I™ Only generate voice file(.dat) Voice file end address:0x1dd2f
Open current project
I—IDLTEK#
Rev. 2.70 13 June 09, 2025



HOLTEK i ’

Voice Workshop User Guide

created for calling related libraries and files.

HT-IDE2000

¢ File Edit View

sp-a= -

P ey sl

New

o Cipen...

Edit

Save

Save o Y6 Project (PRI
Clos

Option Table Viewsr

Backup/Restore Project

Recent Projects

* Choose IDE3000 “‘Project’ — “New” to create a new project

Project | Budd  Debug  Tools Options  Window Help

m & Gy MAIN LOOF

Step9. Create a new IDE-3000 project within the professional mode project directory that was just

-Mq—qa--a?ﬁ

>

3

£ Dp i 0082 @&

« After clicking “New”, a dialog box will appear after which the project information can be entered.

Project Location - Step1

Project Name :

[HTesFv180 | Project Name

Project Location :

|C\VoiceWorksh0p| The location is the same as the project

location in the workshop

Project MCU :

[HTe6FvI60 | Select MCU ~

Choose Language Tool :

4] Create directory for project

MCU Information

RAM Size: 8 Bank(s)
ROM Size: 4000H
Stack Size: 8

| Haltek C Compiler V3(V3.70)/Assembler

[ More project settings

BootLoader Size: 0

[-]

*

<Back(® | Next(N)> | |

Cancel

Note: due to Compiler requirements, the library file must be in the same directory as the project.

Therefore the new IDE3000 project location must be the same as the platform project location
for the called library. If the two projects are in different directories, it is necessary to copy the

library file gg-|

HTGEFY140_UPCHE

sl into the IDE3000 project directory.

Rev. 2.70
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 Click “Next (N)” and then choose the development language.

Project Option - Step2 X

Create a source file to add to your project

Choose the file type to create
® ASM
O .C (V3 C compiler FAQ)

< Back (B) Mext (M) = Cancel

* Add the library file to the new IDE3000 project

Pro ngs b
Project Option ' Debug Option  Directoies Document  Production
Micro Cortroller |HT'55FV1G’D ~
Language Tool:
Holtek C Compiler W3(V3.60)/Assembler ~ Build Option... ISP Bootloader Option
W3 C compiler revision notes
Assembler/Compiler Options
Define Symbal |_\u"3_,Disable_Bit_In'rtiaI,_PBP_=1,
[ Generate listing file Generate Project listing file{ist)
Linker Options
Libraries | ” | Browse I |
Section address | |
— L a1
Browse
« v » ThisPC » OS5(C) » VoiceWorkshop »f HTBEFV1G0
Organize « New folder
& Mame Date modifie
3 Ouick access
] SSBackupFilesss 6/19/2024 4:2
I Deskto -
] P Voice Files 6/19/2024 4:2
i J_’ Downloads %[44 HT66FV160_Voice Librarylib 5/10/2023 10
1 =) Documents

* Refer to the Call Voice library Functions using ASM or Call Voice library Functions by C section

(press Ctrl key and click the link to jump there) to learn how to call functions for building projects.

Step10. After creating the project, download the .MTP file generated by IDE-3000 to the voice MCU
for debugging and playing.

Rev. 2.70 15 June 09, 2025
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Open an existing project

Click on “Load Project” to open an existing project location. Then edit or download it just in the

same way as creating a new project. The interface is shown in the following figure.

) —
o
New Project
Basic Setting
' Open X
« v » ThisPC » OS(C) » VoiceWorkshop » HTS6FVIE0 » v B 2
ce Program
Organize v New folder ~ m @
B This pC A Name Date modified Type Size
Finish ¥ 30 Objects $5BackupFilesS$ File folder
I Desktop Voice Files File folder
B Documents | ] HTBEFV160.pjve PIVE File 1K
J Downloads
b Music
&=| Pictures
 videos
iy 05 (C)
NATA M &4 i 2
File name: | HTG6FV160.pjve | [Project Fie (pjve) v

HCILTEK#

Hardware Circuit

Evaluation Board Schematic Diagram

SST25VFO32B

ul

PAO!
PAZ
PB2

GIDLED
C

PC3

vss

VDD

020
020

PC7

PCs
PCOMISO
PCAMOSI

us
, s POWET o i
6~16V_yiy ol 4 2 [ B}
/T ¢ in
n© 1] IN4148 GND
DCIACK
U3 F
HIIS50
2L vin vou |2 [ -
ol =5 —=c ==ci [rs
T m‘fm [ 100 Tum IKs
/77 /97
For e-Link Link Res

ESK-66FV-100

V1.03

2014-10-16

SPI

ol
ws
AVSS_PA PBOVDDIO (2
HT66FV 140 PCO~PC7
28SOP2SSSOP28DIP VDDIO

=

3VEQ 410mW
SV 1200mW

Speaker

For Extend Speaker
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Using the Evaluation Board

1. Evaluation board introduction

e-Link [ntefls

= 4 J‘
§§1 ESK-66FU~1 Oq _
Z ﬁu:z y]ri-évq:‘ |

2. Hardware setting steps — Evaluation board has been programmed

+ Connect the external speaker

+ Connect to a 6V~16V power using the “power interface” or connect to a 5V power via the “micro
USB port” and turn on the “power switch”. Another solution is to allow the e-Link to supply the
power.

+ Adjust the “audio control keys” to control audio playback and then turn the “volume knob” to
change the volume.

3. Flash Memory DAT File Programming Connections

+ Flash connections

MISO

; i SCK
MOSI

5 6 —

7 § 1=

9 10 Link Res

1m 12 —

CN1

The figure shows the e-Link pin assignment and the actual device in which the triangle points to Pin 1.
The pins in the two pictures directly correspond.

* The following shows the Flash pin assignment.

=) =
CE# | 1. 8| vDD
so | 2! 7| HOLD#
Top View
we# | .3/ 6] scK
vss |4 “5]sl

Rev. 2.70 17 June 09, 2025
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When programming the Flash memory, the e-Link pins and Flash pins should be connected as

follows:

e-Link VDD — Flash VDD; e-Link GND — Flash VSS;
e-Link MISO — Flash SO; e-Link SCK — Flash CK;
e-Link MOSI — Flash SI; e-Link SCS — Flash CE#.

Supported Flash series

MXIC Series
128M bits MX25L12873F MX25L3206E
MX25L6406E . MX25L3235E
32M bits
. MX25L6435E MX25L3208E
64M bits
MX25L6408E MX25L3273E
MX25L6473E MX25L8006E
MX25L1606E 8M bits MX25L8035E
MX25L1633E MX25L8036E
. MX25L1608E . MX25L4006E
16M bits 4M bits
MX25L1635E MX25L4026E
MX25L1636E . MX25L2006E
2M bits
MX25L1673E MX25L2026E
. MX25L1006E .
1M bits 512K bits MX25L512E
MX25L1026E
SST Series
64M bits SST26VF064B 8M bits SST25VF080B
. SST25VF032B .
32M bits 4M bits SST25VF040B
SST26VF032B
. SST25VF016B . SST25PF020B
16M bits 2M bits
SST26VF016B SST25VF020B
Winbond Series
. W25Q128BV W25Q80CV
128M bits .
W25Q128FV 8M bits W25Q80DV
. W25Q64CV W25Q80BL
64M bits
W25Q64FV . W25Q40CL
4M bits
. W25Q32FV W25X40CL
32M bits
W25Q32BV . W25Q20CL
2M bits
W25Q16CV W25X20CL
16M bits W25Q32BV 1M bits W25X10CL
W25Q16CL 512K bits W25X05CL
GigaDevice Series
128M bits GD25Q128C AM bit GD25Q40C
its
64M bits GD25Q64C GD25Q41B
32M bits GD25Q32C 2M bits GD25Q20C
16M bits GD25Q16C 1M bits GD25D10B
8M bits GD25Q8C 512K bits GD25D05B
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2. ASM and C library Instructions
Call Voice library Functions using ASM

Summary

This chapter will introduce how to call the Voice library functions using ASM.

Usage Instructions

After creating the .ASM project:
* Add the library file

Project settings X

Project Option | Debug Option  Directories  Document  Production

Micro Cortroller ||’|-|—'E’E*F'\"'|'E’D ~

Language Tool:

Holtek C Compiler Y3(V3 60)/Assembler ~ Build Option... ISP Bootloader Option
W3 C compiler revision notes

Assembler/Compiler Options

Define Symbol |_V3_Disable_Bit_Initial,__PBP_=1,

[ Generate listing file Generate Project listing filelist)

Linker Options

Libraries | | HT&6FV160_Voice_Library, | | Browse

Section address |
[ Generate Map File

* Add the header file
Add the library header file, XX.hed & Voice Library Choice.asm, in order to call the library

functions.
1 #include "HT66FVU168.inc™
O 7 Project HTG6FV180-1 (] g [ #include HT66FU16M@.hed |
G MCU: HTBEFV160 b PUBLIC  _SYSTEM_INITIALIZATION
) Source Files 5 PUBLIC _CLRRAH
Voice_Library_Choice.asm 6 PUBLIC  _DAC_RAMP_UP
Lo HT66FV160 DEMO.c ; EHSHE —33253"?&333%5 FINISH
HTE6FV160_Voice_Lib_AP.asm 0 bl — -
E] Subroutine.c 108 ;codetiomed .section at B8&H
IE] HT66FV160_veicelib_call_AP.c hh H How Backupfcc,f
£-£) Startup Code 12 ; Hou n,PBP
L@ startupl_Lasm 13 ; CLR PBP
. ; 14 Jwe _PLAY_SENTENCE_ISR
-1 OBIJ Files 15 z
_-J Header Files 16 ;codetime1  .section at OCH
=} External Files 17 H How Backupfcc,n
[h] HTEEFV160.h 18  ;  HOoU n.PBP
[b] build-ink 1 H P PLAv_vace_1sn
E] HTEEFV1ED Voicelib_call.h 99 * - - —
@ Subroutine.h 99
| HT6EFV160.inc 23 s#tdefine AP_Start_aAddress 486h
HT66FV160.hed 24
25 ;codetiomed .section at B8H+

» Refer to the Program Example for programming.(ASM Program Example)
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ASM Library Functions

_CLRRAM
Description:

Clear all the ram banks.
Example:

_CLRRAM

_SYSTEM_INITIALIZATION

Description:

Setup the system frequency fsvs, SPI interface configuration, timers initialization, etc.
Example:

_CLRRAM

_SYSTEM_INITIALIZATION

_DAC_RAMP_UP

Description:

Enable DA function. After the function is executed, then call the “ PLAY VOICE, PLAY
SENTENCE, PLAY_SENTENCE_INDEX” functions.

Example:
_DAC_RAMP_UP
_PLAY_VOICE 0,0,0,7,0

_DAC_RAMP_DOWN

Description:

Disable the DA function. After the “ PLAY VOICE, PLAY SENTENCE, PLAY
SENTENCE INDEX” functions is executed then call the function to reduce unnecessary
power consumption.

Example:
_PLAY VOICEO0, 0,0, 7,0
_DAC_RAMP DOWN

_STOP_PLAY
Description:

Stop playing. Call this function directly at any time.
Example:

_STOP_PLAY
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_VOLUME Volume
Description:

Set the volume level. Write the volume value with reference to the specification.
Parameter:
Volume: The specification volume value.
Example: VOLUME 0 ; Set the volume to minimum.
_VOLUME 7 ; Set the volume to maximum. Note that for different volume
;values, there are different settings scopes, so refer to the

;specification for the volume value.

Note: 1. Volume of 0 ~ 12 (HT66FV1XO0 series)
2. Volume of 0 ~ 5 (BH67F2472)

_PLAY_VOICE VoiceNumHigh, VoiceNumLow, Channel, Volume, Reserve
Description:

Play the voice file and the DAT generated by the WAV voice file saved to the Flash with the
Voice Workshop in advance.

Parameter:
VoiceNumHigh: Voice NUM high byte
VoiceNumLow: Voice NUM low byte
Channel: Voice channel selection(now only support channel 0)
Volume: Voice volume selection(0-7)
Reserve: 0
Example:

Play the first audio source original file (Note: on the UI, the first audio source number is 0
instead of 1) Select volume 7

Then:
~DAC RAMP_UP
_PLAY _VOICEO0,0,0,7,0
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_PLAY_SENTENCE SentenceNumHigh, SentenceNumLow, Channel, Volume,
Reserve

Description:
play_sentence
Parameter:
SentenceNumHigh: SentenceAddr high byte
SentenceNumLow: SentenceAddr low byte
Channel: Voice channel selection(now only support channel 0)
Volume: Sentence voice volume
Reserve: 0
Example:
Play the first sentence file, assume the address is 0100H and set the volume as 7
then:
_DAC _RAMP_UP
_PLAY_SENTENCE 01h, 00h, 0, 7, 0

Note: entence addresses can be seen in the Demo_key mapping.h file within the Workshop project
directory, as shown below (the first sentence address is 0100H)

#define COMMARND1_START ADDEESS O10CH ;;

_PLAY_SENTENCE_INDEX Reservel, Sentence index, Channel, Volume, Reserve

Description:

Which the first Sentence

Parameter:
Reservel: no use
What index, the index number (1-255)
Channel: choose the sound audio broadcast Channel (currently only support Channel 0)
Volume: what the Volume option
Reserve: 0
Example:
play the first sentence 1 file, with the volume of 7
then:
~DAC RAMP UP
_PLAY_SENTENCE INDEXO0, 1,0,7,0
Note: what index in voice schedule list, as shown in the figure below:
Voice Program List

Trigger Source Trigger Source Name Function

[ Sentence 1 ] | Sentence 1 | M
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_MODIFY_SAMPLINGRATE mSamplingRate
Description:

Change the current broadcast voice sampling rate
Parameter:

MSamplingRate: specify the sampling rate value (Hz)
Example:

Change the current broadcast voice sampling rate of 11025 hz
then:

_MODIFY_SAMPLINGRATE 11025

_PLAY_VOICEO0,0,0,7,0

_PLAY_VOICE_ISR

Description:

According to the initialization time, when the timer interrupt arrived, enter into the interrupt
function to play voice.

Example:
ORG XXH ; XXH: play voice timer interrupt entry
_PLAY_VOICE _ISR

_PLAY_SENTENCE_ISR

Description:

According to the initialization time, when the timer interrupt is generated, enter the interrupt

subroutine to play a sentence.

Example:
ORG XXH ; XXH: play sentence timer interrupt entry
_PLAY_SENTENCE ISR

Note: The program is used to determine whether a voice or sentence is playing or has been played

MOV A,00H

SZ fSentencePlaying ;fSentencePlaying=1 means Sentence is playing, 0 means played
RET

SZ fVoiceStandBy ;fVoiceStandBy=0 means Voice is playing, 1 means played
MOV A,01H ;if Play voice or sentence has finished, then A=1, or A=0. Through

;the A value, to determine if voice or sentence has played.

_ENABLE_VDDIO
Description:

Call this function to enable the MCU VDDIO function and the voltage on the SPI pins will be
sourced from the VDDIO. After the function is executed then call the “ CLRRAM?” function.

Example:
_ENABLE_VDDIO
_CLRRAM
_SYSTEM_INITIALIZATION
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_PAUSE
Description:

Call this function to pause playing when a voice or sentence is playing.

Example:
~PLAY VOICEDO, 0,0, 3,0 ; Play the first voice, the volume level is 3
_CALL DELAY ; Delay function, pause after the voice is played for a while
_PAUSE ; Call the “_PAUSE” function

Note: The delay function is only an example, which is not provided in the voice library. The specific
condition of the voice play pause is determined by the user.

_RESUME
Description:

After the “ PAUSE” function is executed then call the “ RESUME” function to resume play.

Example:
_PLAY VOICEDO0, 0, 0, 3,0 ; Play the first voice, the volume level is 3
_CALL DELAY ; Delay function, pause after the voice is played for a while
_PAUSE ; Call the “ PAUSE” function
_CALL DELAY
_RESUME ; Resume play

Note: The delay function is only an example, which is not provided in the voice library. The specific
condition of the voice play resume is determined by the user.

ASM Program Example

Using a voice library, must add the following files in the project:
1. Voice Library Choice.asm
2. MCUNAME Voice Library.lib

[Application example — HT66FV130]

#INCLUDE HT66FV130.INC
#INCLUDE HT66FV130.HED
CODE .SECTION AT  0000H ‘CODE'
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
CLR WDT
CLR WDT2
JMP  PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 0cH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL ~ SYSTEM INITIALIZATION ;System initialization
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CALL  DAC RAMP UP 7Open DAC and do ramp up

_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy

JMP $-1 ;Wait play voice finish

_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address 1is

;0100H, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish

_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish

CALL  DAC RAMP DOWN 7Close DAC and do ramp down

CLR WDT

CLR WDT2

JMP $-2

[Application example — HT66FV140]

#INCLUDE ~ HT66FV140.INC
#INCLUDE ~ HT66FV140.HED

CODE .SECTION AT  0000H ‘CODE'
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
CLR WDT
CLR WDT2
JMP _PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 0CH
CLR WDT
CLR WDT2
JMP _PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP ;Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,004,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN ;Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — HT66FV150]

#INCLUDE HT66FV150.INC
#INCLUDE HT66FV150.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 0CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — HT66FV160]

#INCLUDE HT66FV160.INC
#INCLUDE HT66FV160.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
MOV BackupAcc,A
MOV A,PBP
CLR PBP
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 0CH
MOV BackupAcc,A
MOV A,PBP
CLR PBP
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL ~ SYSTEM INITIALIZATION ;System initialization
CALL  DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
CLR WDT
CLR WDT2
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CLR WDT
CLR WDT2
JMP $-2
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[Application example — BH67F2262]

#INCLUDE BH6TF2262.INC
#INCLUDE BH67F2262.HED
CODE .SECTION AT  0000H  ‘CODE’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 010H
MOV BackupAcc,A
MOV A,PBP
CLR PBP
JMP _PLAY SENTENCE ISR
ORG 014H
MOV BackupAcc,A
MOV A,PBP
CLR PBP
JMP _PLAY VOICE ISR
ORG 50H
Begin:

CALL _CLRRAM

CALL _SYSTEM INITIALIZATION
CALL _DAC RAMP UP

_PLAY VOICE 0,0,0,5,0

CLR WDT

CLR WDT2

SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

CLR WDT

CLR WDT2

SZ fSentencePlaying
JMP $-3

_PLAY SENTENCE INDEX 0,1,0,5,0

CLR WDT

CLR WDT2

SZ fSentencePlaying
JMP $-3

CALL _DAC RAMP DOWN
CLR WDT

CLR WDT2

JMP $-2

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks

;System initialization

;Open DAC and do ramp up

;Play the first audio, volume is 5

;Wait play voice finish
;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish
;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish
;Close DAC and do ramp down
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[Application example — BH67F2472]

#INCLUDE BH67F2472.INC
#INCLUDE BH67F2472.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 010H
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 018H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish

_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the sentence which inedx is 1,

SZ
JMP

CIR
CIR
JMP

;volume is 5
fSentencePlaying
$-3 ;Wait play sentence finish

WDT
WDT2
$-2
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[Application example — HT45F67]

#INCLUDE HT45F67.INC
#INCLUDE HT45F67.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 10H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP  PLAY VOICE ISR ;Timer2 interrupt(voice)
ORG 14H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP PLAY SENTENCE ISR ;Timerl interrupt(sentence)
ORG 30H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL ~ SYSTEM INITIALIZATION ;System initialization
CALL  DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
CLR WDT
CLR WDT2
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CLR WDT
CLR WDT2
JMP $-2
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[Application example — HT45F65]

#INCLUDE HT45F65.INC
#INCLUDE HT45F65.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 10H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP PLAY SENTENCE ISR ;Timerl interrupt(sentence)
ORG 18H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP  PLAY VOICE ISR ;Timer2 interrupt(voice)
ORG 30H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL ~ SYSTEM INITIALIZATION ;System initialization
CALL  DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
CLR WDT
CLR WDT2
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CLR WDT
CLR WDT2
JMP $-2
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[Application example — HT45F3W]

#INCLUDE HT45F3W.INC
#INCLUDE HT45F3W.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0CH
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP PLAY SENTENCE ISR ;Timerl interrupt(sentence)
ORG 10H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP  PLAY VOICE ISR ;Timer2 interrupt(voice)
ORG 30H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL ~ SYSTEM INITIALIZATION ;System initialization
CALL  DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
CLR WDT
CLR WDT2
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CLR WDT
CLR WDT2
JMP $-2
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[Application example — HT66F4550]

#INCLUDE HT66F4550.INC
#INCLUDE HT66F4550.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0CH
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer interrupt(sentence)
ORG 10H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timer interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2

Rev. 2.70 33 June 09, 2025



HDLTEK# Voice Workshop User Guide

[Application example — BA45F5250]

#INCLUDE BA45F5250.INC
#INCLUDE BA45F5250.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 2CH
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer interrupt(sentence)
ORG 3CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timer interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — BA45F5260]

#INCLUDE BA45F5260.INC
#INCLUDE BA45F5260.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 1CH
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer interrupt(sentence)
ORG 20H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timer interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — BA45F6750]

#INCLUDE
#INCLUDE

CODE
ORG
CIR
CIR
JMP

ORG
CIR
CIR
JMP

ORG
CIR
CIR
JMP
ORG

Begin:

CALL
CALL

CALL

BA45F6750.INC
BA45F6750.HED

.SECTION AT
00H

WDT

WDT2

Begin

024H
WDT
WDT2

_PLAY SENTENCE ISR

02CH
WDT
WDT2
_PLAY VOICE ISR

50H

_CLRRAM

_SYSTEM INITIALIZATION

_DAC_RAMP UP

_PLAY VOICE 0,0,0,5,0

SNZ
JMP

_PLAY SENTENCE 01H,00H,0,5,0

SZ
JMP

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ
JMP
CALL

CIR
CIR
JMP

fVoiceStandBy
$-3

fSentencePlaying
$-3

fSentencePlaying
$-3
_DAC_RAMP_DOWN

WDT
WDT2
$-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish
;Close DAC and do ramp down
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[Application example — BA45F6752]

#INCLUDE BA45F6752.INC
#INCLUDE BA45F6752.HED
CODE .SECTION AT 0000H
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0244
CLR WDT
CLR WDT2
JMP  PLAY SENTENCE ISR
ORG 02CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR
ORG 50H
Begin:
CALL CLRRAM
CALL  SYSTEM INITIALIZATION
CALL  DAC RAMP UP

_PLAY VOICE 0,0,0,5,0
SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

SZ
JMP

fSentencePlaying
$-3

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ fSentencePlaying
JMP $-3

CALL  DAC RAMP DOWN
CLR WDT

CLR WDT2

JMP $-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish
;Close DAC and do ramp down
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[Application example — BA45F6756]

#INCLUDE
#INCLUDE

CODE
ORG
CIR
CIR
JMP

ORG
CIR
CIR
JMP

ORG
CIR
CIR
JMP
ORG

Begin:

CALL
CALL

CALL

BA45F6756.INC
BA45F6756.HED

.SECTION AT
00H

WDT

WDT2

Begin

024H
WDT
WDT2

_PLAY SENTENCE ISR

02CH
WDT
WDT2
_PLAY VOICE ISR

50H

_CLRRAM

_SYSTEM INITIALIZATION

_DAC_RAMP UP

_PLAY VOICE 0,0,0,5,0

SNZ
JMP

_PLAY SENTENCE 01H,00H,0,5,0

SZ
JMP

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ
JMP
CALL

CIR
CIR
JMP

fVoiceStandBy
$-3

fSentencePlaying
$-3

fSentencePlaying
$-3
_DAC_RAMP_DOWN

WDT
WDT2
$-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish
;Close DAC and do ramp down
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[Application example — BA45F6758]

#INCLUDE BA45F6758.INC
#INCLUDE BA45F6758.HED
CODE .SECTION AT 0000H
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0244
CLR WDT
CLR WDT2
JMP  PLAY SENTENCE ISR
ORG 02CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR
ORG 50H
Begin:
CALL CLRRAM
CALL  SYSTEM INITIALIZATION
CALL  DAC RAMP UP

_PLAY VOICE 0,0,0,5,0
SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

SZ
JMP

fSentencePlaying
$-3

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ fSentencePlaying
JMP $-3

CALL  DAC RAMP DOWN
CLR WDT

CLR WDT2

JMP $-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish
;Close DAC and do ramp down
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[Application example — BA45F5750]

#INCLUDE BA45F5750.INC
#INCLUDE BA45F5750.HED
CODE .SECTION AT 0000H
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 02CH
CLR WDT
CLR WDT2

JMP  PLAY SENTENCE ISR

ORG 03CH
CIR WDT
CIR WDT2

JMP  PLAY VOICE ISR
ORG 50H
Begin:

CALL CLRRAM
CALL  SYSTEM INITIALIZATION

CALL  DAC RAMP UP
_PLAY VOICE 0,0,0,5,0
SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

SZ fSentencePlaying
JMP $-3

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ fSentencePlaying
JMP $-3

CALL _DAC_RAMP DOWN

CIR WDT
CIR WDT2
JMP $-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish

;Close DAC and do ramp down
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[Application example — BA45F5760]

#INCLUDE BA45F5760.INC
#INCLUDE BA45F5760.HED
CODE .SECTION AT 0000H
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 01CcH
CLR WDT
CLR WDT2
JMP  PLAY SENTENCE ISR
ORG 020H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR
ORG 50H
Begin:
CALL CLRRAM
CALL  SYSTEM INITIALIZATION
CALL  DAC RAMP UP

_PLAY VOICE 0,0,0,5,0
SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

SZ
JMP

fSentencePlaying
$-3

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ fSentencePlaying
JMP $-3

CALL _DAC RAMP DOWN
CLR WDT

CLR WDT2

JMP $-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1
;volume is 5

;Wait play sentence finish

;Close DAC and do ramp down

4
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[Application example — BA45F6850]

#INCLUDE BA45F6850.INC
#INCLUDE BA45F6850.HED
CODE .SECTION AT 0000H
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0244
CLR WDT
CLR WDT2

JMP  PLAY SENTENCE ISR

ORG 02CH
CIR WDT
CIR WDT2

JMP  PLAY VOICE ISR
ORG 50H
Begin:

CALL CLRRAM
CALL  SYSTEM INITIALIZATION

CALL  DAC RAMP UP
_PLAY VOICE 0,0,0,5,0
SNZ fVoiceStandBy
JMP $-3

_PLAY SENTENCE 01H,00H,0,5,0

SZ fSentencePlaying
JMP $-3

_PLAY SENTENCE INDEX 0,1,0,5,0

SZ fSentencePlaying
JMP $-3

CALL _DAC_RAMP DOWN

CIR WDT
CIR WDT2
JMP $-2

‘CODE’

;Timer0 interrupt (sentence)

;Timerl interrupt(voice)

;Clear all RAM banks
;System initialization

;Open DAC and do ramp up
;Play the first audio, volume is 5
;Wait play voice finish

;Play the sentence whose address is
;0100H, volume is 5

;Wait play sentence finish

;Play the sentence which inedx is 1,
;volume is 5

;Wait play sentence finish

;Close DAC and do ramp down
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[Application example — BA45F6856]

#INCLUDE BA45F6856.INC
#INCLUDE BA45F6856.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0244
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 02CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 50H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish

_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the sentence which inedx is 1

SZ
JMP

CALL

CIR

CIR
JMP

;volume is 5
fSentencePlaying
$-3 ;Wait play sentence finish

_DAC RAMP DOWN 7Close DAC and do ramp down
WDT

WDT2
$-2

4
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[Application example — HT45F23A]

#INCLUDE HT45F23A.INC
#INCLUDE HT45F23A.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0CH
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 10H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 20H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — HT45F24A]

#INCLUDE HT45F24A.INC
#INCLUDE HT45F24A.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 0CH
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 10H
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 20H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — HT86B03] (Suitable for HT86B10, HT86B20, HT86B30)

#INCLUDE HT86B03.INC
#INCLUDE HT86B03.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
CLR WDT
CLR WDT2
JMP PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 0CH
CLR WDT
CLR WDT2
JMP  PLAY VOICE ISR ;Timerl interrupt(voice)
ORG 20H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
SNZ fVoiceStandBy
JMP $-1 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is

;0100H, volume is 5
SZ fSentencePlaying
JMP $-1 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
SZ fSentencePlaying

JMP $-1 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CIR WDT

CIR WDT2

JMP $-2
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[Application example — HT86B40] (Suitable for HT86B50, HT86B60, HT86B70,
HT86B80, HT86B90)

#INCLUDE HT86B40.INC
#INCLUDE HT86B40.HED
CODE .SECTION AT 0000H ‘CODE'’
ORG 00H
CLR WDT
CLR WDT2
JMP Begin
ORG 08H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP  PLAY SENTENCE ISR ;Timer0 interrupt(sentence)
ORG 10H
MOV BackupAcc, A
MOV A,BP
CLR BP
JMP  PLAY VOICE ISR ;Timer2 interrupt(voice)
ORG 20H
Begin:
CALL  CLRRAM ;Clear all RAM banks
CALL  SYSTEM INITIALIZATION ;System initialization
CALL ~ DAC RAMP UP 7Open DAC and do ramp up
_PLAY VOICE 0,0,0,5,0 ;Play the first audio, volume is 5
CLR WDT
CLR WDT2
SNZ fVoiceStandBy
JMP $-3 ;Wait play voice finish
_PLAY SENTENCE 01H,00H,0,5,0 ;Play the sentence whose address is
;0100H, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
_PLAY SENTENCE INDEX 0,1,0,5,0 ;Play the first sentence, volume is 5
CLR WDT
CLR WDT2
SZ fSentencePlaying
JMP $-3 ;Wait play sentence finish
CALL ~ DAC RAMP DOWN 7Close DAC and do ramp down
CLR WDT
CLR WDT2
JMP $-2
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Call Voice library Functions by C

Summary

This chapter will introduce how to call the Voice library functions using C language.

How to use

After creating the .C project:
* Add the library file

Project settings

Project Option | Debug Option  Directories

Document  Production

Micro Controller ||’|-|—'E’E‘F‘\"'|'E’D

Language Tool:
Holtek C Compiler Y3(V/3 60)/Assembler ~

V3 C compiler revision notes

Assembler/Compiler Options

Build Option...

ISP Bootloader Option

Define Symbol

|_v3_Disable_Bit_Intial__PBP__~1,

[ Generate listing file

Linker Options

Generate Project listing fils {ist)

Libraries | | HTE6FV160_Voice_Library,

| | Browse

Section address |

[~] Generate Map File

Cancel

* The related files needed to add the library function is as follows:

Voice Library Choice.asm, XX.hed, XX voicelib_call. AP.c, XX Voicelib call.h, XX Voice
Lib_APasm

"+ Project: HTBEFV160-1 ()
g MCU: HTBEFV160

] Source Files

-[2] Voice_Library_Choice.asm |

Jc] HT66FV160_DEMO.c

-[B] HT66FV160_Voice_Lib_AP.asm |

I?\ Subroutine.c

@ HTBEFV160 voicelib_call_AP.c |

] Startup Code
startupl_l.asm
.....1 OBJ Files

J Header Files
=L External Files
-[h] HTBEFV160.h
-[n] build-in.h

[h] HTE6FV160_Voicelib_call.h |

~{h] Subroutine.h
--[Z] HTB6FV160.inc

HT66FV160.hed |

1 #include ""HT66FU168.h"

2 #include "HT66FU168 Unicelib_call.h"
3

y #define use_mode B8

5

6 Iuoid maing)

7 By

8 H GCC_CLRWDT();

9 : GCC_CLRWDT2();

18 H

1 ENABLE_UDDIO();

12 CLRRAM{ ) ;

13 ! SYSTEM_INITIALIZATION();

1 DAC_RAMP_UP{);

15 e
16 #if use_mode ==

17

18 : ttinclude “Subroutine.h”

19 Key_Led_Init({);

28 while{1)

2165 %

22 ! GCC_CLRUDT();

23 ! ! GCC_CLRUDT2();

2y H H DoCommand{ScanKey{)};

25 : if (CHECK PLAYUOICE FINISH())
26 0! Ly

27 : ! WhichLED{ 8x 0} ;

* Add “XX voicelib_call.h” file to the project directory, and place it within the C file “#include
"XX voicelib_call.h"” which will be called. It is declaration of all functions which will called.

» Refer to the C Program Example for programming (C Program Example).
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C Library Functions

void CLRRAM( );
Description:

ram bank0, bank1, 00h~FFh are cleared to zero.
Example:

CLRRAM( );

void SYSTEM_INITIALIZATION( );

Description:

Setup the system frequency fsvs, SPI interface configuration, timer initialization, etc.
Example:

CLRRAM( );

SYSTEM_INITIALIZATION( );

void DAC_RAMP_UP( );

Description:

Enable DA function. After the function is executed then call the “PLAY_VOICE(), PLAY _
SENTENCE(), PLAY SENTENCE_INDEX()” function.

Example:
DAC_RAMP_UP();
PLAY VOICE();

void DAC_RAMP_DOWN( );

Description:

Disable DA function. After the “PLAY_VOICE(), PLAY SENTENCE(), PLAY
SENTENCE INDEX()” functions is executed then call the function to reduce unnecessary
power consumption.

Example:
PLAY VOICE();
DAC_RAMP_DOWN( );

void STOP_PLAY( );
Description:

Stop playing. Call this function directly at any time.
Example:

STOP_PLAY( );

Void VOLUME_CHOICE(unsigned char vol);
Description:

Set the volume level. Write the volume value with reference to the specification.
Parameter:

Vol: The volume value in the specification
Example:

VOLUME_CHOICE(0x67);
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void PLAY_VOICE (unsigned char Voicenumh, unsigned char Voicenuml, unsigned
char vol_voice);

Description:
play_voice
Parameter:
Voicenumh: Voice NUM high byte
Voicenuml: Voice NUM low byte
vol voice: Voice volume selection
Example:

Play the first audio source original file (Note: on the UI, the first audio source number is 0
instead of 1) Select volume Gain=6DB(0x0C in the specification)

Then:
DAC_RAMP_UP();
PLAY_VOICE(0,0,0xc);
Note: The parameter Voicenumh, Voicenuml, vol voice for variable form, PLAY VOICE (A, B, C);

Void PLAY_SENTENCE (unsigned char SentenceAddrH, unsigned char
SentenceAddrL, unsigned char vol_sentence)

Description:
play_sentence

Parameter:
SentenceAddrH: SentenceAddr high byte
SentenceAddrL: SentenceAddr low byte

vol_sentence: Sentence volume selection

Note: SentenceAddr: Selected “play voice” Function address on the Ul of the Voice Workshop
version platform. Refer to the Workshop S/W generated file “Demo_key mapping.h”.

Example:
Play the first sentence file, assume the address is 0100H
Select volume Gain=6DB (0x0C in the specification)
Then:
DAC_RAMP_UP();
PLAY_SENTENCE (0x01,0x00,0x0c);

Note: The parameter SentenceAddrH, SentenceAddrL, vol sentence variables to form such as:
PLAY SENTENCE (A, B, C);

Rev. 2.70 50 June 09, 2025



Voice Workshop User Guide HDLTEK#

Void PLAY_SENTENCE_INDEX (unsigned char Reserve1, unsigned char
Sentencelndex, unsigned char vol_sentence)

Description:
play which in the first Sentence
Parameters:
Reservel: no use
Sentencelndex: what number (1-255)
Vol_Sentence: what the volume option
Example:
play the first sentence 1 file, with the volume of 7
Then:
DAC_RAMP_UP();
PLAY SENTENCE INDEX (0, 1, 7);
Note: what Index in voice schedule list, as shown in the figure below:
Voice Program List

Trigger Source Trigger Source Name Function

| Sentence 1 | Sentence 1 | m

unsigned char CHECK_PLAYVOICE_FINISH( );
Description:
Determine if the “play voice” or “play sentence” has finished or not
Return value:
1: play finished
0: play unfinished
Example:
do

GCC_CLRWDT();
GCC_CLRWDT2();
}while(ICHECK_PLAYVOICE_FINISH());
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void MODIFY_SAMPLINGRATE (unsigned int mSamplingRate)
Description:

Change the current broadcast voice sampling rate
Parameters:

MSamplingRate: specify the sampling rate value (Hz)
Example:

Change the current broadcast voice sampling rate of 11025Hz
Then:

MODIFY_SAMPLINGRATE (11025);

PLAY_VOICE (0,0,7);

Note: this function is used, the USE_ MODIFY_SAMPLINGRATE must be set to 1, the parameters
in xxx_voicelib_call. H

#define USE_NODIFY_SANPLINGRATE 1 // =1:use NODTFY_SANPLINGRATE () funetion

void ENABLE_VDDIO ( );
Description:

Call this function to enable the MCU VDDIO function and the voltage on the SPI pins will be
sourced from the VDDIO. After the function is executed then call the “CLRRAM ()” function.

Example:
ENABLE_VDDIO ();
CLRRAM ();
SYSTEM_INITIALIZATION ();

void PAUSE ( );
Description:

Call this function to pause playing when a voice or sentence is playing.
Example:
PLAY_ VOICE (0, 0, 3); //Play the first voice, the volume level is 3
DELAY (); //Delay function, pause after the voice is played for a while
PAUSE (); /[Call the “PAUSE ()” function

Note: The delay function is only an example, which is not provided in the voice library. The specific
condition of the voice play pause is determined by the user.

void RESUME ( );
Description:

After the “PAUSE ()” function is executed than call the “RESUME ( )” function to resume play.

Example:
PLAY_VOICE(0, 0, 3) //Play the first voice, the volume level is 3
DELAY () //Delay function, pause after the voice is played for a while
PAUSE () //Call the “PAUSE ()” function
DELAY ()
RESUME () // Resume play

Note: The delay function is only an example, which is not provided in the voice library. The specific
condition of the voice play resume is determined by the user.
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C Program Example
Using a voice library, must add the following files in the project:
1. Voice Library Choice.asm
2. MCUNAME Voice Library.lib
3. MCUNAME .hed
4. MCUNAME _Voice Lib.asm
5. MCUNAME Voicelib_call.c
6. MCUNAME_Voicelib_call.h

[Application example — HT66FV130]

#include "HT66FV130.h"
#include "HT66FV130 voicelib call.h"

void main()

{

GCC_CLRWDT () ;
GCC_CLRWDT2() ;

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while(1)
{
GCC_CLRWDT();

GCC_CLRWDT2() ;
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[Application example — HT66FV140]

#include "HT66FV140.h"
#include "HT66FV140 voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_REMP UP();

PLAY VOICE(0,0,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
while (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is

//0100H, volume is 5
//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — HT66FV150]

#include "HT66FV150.h"
#include "HT66FV150 voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_REMP UP();

PLAY VOICE(0,0,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
while (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is

//0100H, volume is 5
//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — HT66FV160]

#include "HT66FV160.h"
#include "HT66FV160_ voicelib call.h"

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{

GCC_CLRWDT() ;

GCC_CLRWDT2();
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[Application example — BH67F2262]

#include “BH67F2262.h”
#include “BH67F2262 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_RAMP UP();

PLAY VOICE(0,0,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
PLAY SENTENCE (0x01,0x00,5);

do

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
DAC RAMP DOWN();

while(1)

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address
//is 0100H, volume is 5

//Wait play voice finish

//Play the first sentence, volume is 5

//Wait play voice finish

//Close DAC and do ramp down
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[Application example — BH67F2472]

#include “BH67F2472.h"
#include “BH67F2472 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2();
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[Application example — HT45F67]

#include "HT45F67.h"
#include "HT45F67 voicelib call.h"

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_RAMP UP();

PLAY VOICE(0,0,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
PLAY SENTENCE (0x01,0x00,5);

do

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
DAC RAMP DOWN();

while(1)

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is
//0100H, volume is 5

//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — HT45F65]

#include "HT45F65.h"
#include "HT45F65 voicelib call.h"

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{

GCC_CLRWDT() ;

GCC_CLRWDT2();
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[Application example — HT45F3W]

#include "HT45F3W.h"
#include "HT45F3W_voicelib call.h"

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_RAMP UP();

PLAY VOICE(0,0,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
PLAY SENTENCE (0x01,0x00,5);

do

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();

Jwhile (!CHECK PLAYVOICE FINISH());
DAC RAMP DOWN();

while(1)

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is
//0100H, volume is 5

//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — HT66F4550]

#include "HT66F4550.h"
#include "HT66F4550 voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_REMP UP();

PLAY VOICE(0,0,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
while (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is

//0100H, volume is 5
//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — BA45F5250]

#include “BA45F5250.h”
#include “BA45F5250 voicelib call.h”

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_REMP UP();

PLAY VOICE(0,0,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
while (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is

//0100H, volume is 5
//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — BA45F5260]

#include “BA45F5260.h"
#include “BA45F5260 voicelib call.h”

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_REMP UP();

PLAY VOICE(0,0,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);
while (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
while (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address is

//0100H, volume is 5
//Wait play sentence finish

//Play the first sentence, volume is 5

//Wait play sentence finish

//Close DAC and do ramp down
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[Application example — BA45F6750]

#include “BA45F6750.h”
#include “BA45F6750 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;
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[Application example — BA45F6752]

#include “BA45F6752.h"
#include “BA45F6752 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;
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[Application example — BA45F6756]

#include “BA45F6756.h"
#include “BA45F6756 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;

Rev. 2.70 67 June 09, 2025



HDLTEK# Voice Workshop User Guide

[Application example — BA45F6758]

#include “BA45F6758.h"
#include “BA45F6758 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;
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[Application example — BA45F5750]

#include “BA45F5750.h”
#include “BA45F5750 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;
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[Application example — BA45F5760]

#include “BA45F5760.h”
#include “BA45F5760 voicelib call.h”

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_RAMP UP();

PLAY VOICE(0,0,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);

do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2() ;

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address
//is 0100H, volume is 5

//Wait play voice finish

//Play the first sentence, volume is 5

//Wait play voice finish

//Close DAC and do ramp down

Rev. 2.70

70

June 09, 2025



Voice Workshop User Guide HDLTEK#

[Application example — BA45F6850]

#include “BA45F6850.h”
#include “BA45F6850 voicelib call.h”

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()

CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address
//is 0100H, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ (s
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{
GCC_CLRWDT() ;

GCC_CLRWDT2() ;
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[Application example — BA45F6856]

#include “BA45F6856.h"
#include “BA45F6856_voicelib call.h”

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ;
SYSTEM INITIALIZATION();

DAC_RAMP UP();

PLAY VOICE(0,0,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE (0x01,0x00,5);

do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

PLAY SENTENCE INDEX(0,1,5);
do
{
GCC_CLRWDT() ;
GCC_CLRWDT2();
Jwhile (!CHECK PLAYVOICE FINISH());

DAC RAMP DOWN();

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2() ;

//Clear all RAM banks
//System initialization

//Open DAC and do ramp up

//Play the first audio, volume is 5

//Wait play voice finish

//Play the sentence whose address
//is 0100H, volume is 5

//Wait play voice finish

//Play the first sentence, volume is 5

//Wait play voice finish

//Close DAC and do ramp down
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[Application example — HT45F23A]

#include "HT45F23A.h"
#include "HT45F23A voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ; //Clear all RAM banks

SYSTEM INITIALIZATION(); //System initialization

DAC_RAMP UP(); //Open DAC and do ramp up

PLAY VOICE(0,0,5); //Play the first audio, volume is 5

while (!CHECK_PLAYVOICE FINISH()); //Wait play voice finish

PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

DAC_RAMP DOWN(); //Close DAC and do ramp down

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();
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[Application example — HT45F24A]

#include "HT45F24A.h"
#include "HT45F24A voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ; //Clear all RAM banks

SYSTEM INITIALIZATION(); //System initialization

DAC_RAMP UP(); //Open DAC and do ramp up

PLAY VOICE(0,0,5); //Play the first audio, volume is 5

while (!CHECK_PLAYVOICE FINISH()); //Wait play voice finish

PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

DAC_RAMP DOWN(); //Close DAC and do ramp down

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();
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[Application example — HT86B03] (Suitable for HT86B10, HT86B20, HT86B30)

#include "HT86B03.h"
#include "HT86B03 voicelib call.h"

void main()

{

GCC_CLRWDT() ;
GCC_CLRWDT2();

CLRRAM() ; //Clear all RAM banks

SYSTEM INITIALIZATION(); //System initialization

DAC_RAMP UP(); //Open DAC and do ramp up

PLAY VOICE(0,0,5); //Play the first audio, volume is 5

while (!CHECK_PLAYVOICE FINISH()); //Wait play voice finish

PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
while (!CHECK_PLAYVOICE FINISH()); //Wait play sentence finish

DAC_RAMP DOWN(); //Close DAC and do ramp down

while(1)

{
GCC_CLRWDT() ;
GCC_CLRWDT2();
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[Application example — HT86B40] (Suitable for HT86B50, HT86B60, HT86B70,
HT86B80, HT86B90)

#include "HT86B40.h"
#include "HT86B40_voicelib call.h"

void main()

{
GCC_CLRWDT() ;
GCC_CLRWDTZ ()
CLRRAM() ; //Clear all RAM banks
SYSTEM INITIALIZATION(); //System initialization
DAC_RAMP UP(); //Open DAC and do ramp up
PLAY VOICE(0,0,5); //Play the first audio, volume is 5
do
{

GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play voice finish
PLAY SENTENCE (0x01,0x00,5); //Play the sentence whose address is
//0100H, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
PLAY SENTENCE INDEX(0,1,5); //Play the first sentence, volume is 5
do
{
GCC_CLRWDT() ;

GCC_CLRWDT2();

}while(!CHECK PLAYVOICE FINISH()); //Wait play sentence finish
DAC_RAMP DOWN(); //Close DAC and do ramp down
while (1)
{

GCC_CLRWDT() ;

GCC_CLRWDT2();
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3. Voice Library Establishment and Emulator

HT66FV130

* Resource Usage Table:

ression Mode| LEFAULT | HT-ADPCM4 | HT-PCM12 | HT-UPCMS8 | HT-PCM16

Resources Use
584/2048 241/2048 51/2048 316/2048 17/2048

PROM(Word) 27%) (11%) (2%) (15%) (1%)
RAM(Byte) 37/128(28%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SPICO, SPIC1, SPID
D/A: USVC, DAH, DAL

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, CTMOCO, CTMOC1,

CTMOAL, CTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PCS1, PCPU, PBSO

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SCS, SCK, MISO, MOSI

+ PTMO interrupt is used for play voice operation — interrupt entry address: 0CH

+ CTMO interrupt is used for the play sentence operation — interrupt entry address: 08H
+ DAC module is used for the Flash audio data D/A converter — used pin: AUD, AUDIN

+ Power amplifier module — used pin: SP+, SP-

* Different function calls require different PROM sizes, as shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 26
_PLAY_SENTENCE 25
_PLAY_SENTENCE_INDEX 30
_VOLUME 19
_MODIFY_SAMPLINGRATE 1
_ENABLE_VDDIO 3
_PAUSE 3
_RESUME 3
_SLEEP_INIT 13
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 Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed formats is shown in the following table:

m 8MHz 12MHz 16MHz
HT-ADPCM4 13kHz 20kHz 27kHz
HT-PCM12 12kHz 18KkHz 24kHz
HT-uPCM8 11kHz 17kHz 22kHz
HT-PCM16 13kHz 19KkHz 26kHz

* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT66VV130 for simulating and debugging.
In addition an external SPI Flash is needed.

+ e-Link Pin Assignment:

VDD 1 ’ MISO
B scx
02C MOSI
& 6 S
b | 7 8 -
O2D/LED Link Res
9 10
I 11 12
= CN1

il

D
DSCK |
ISP+ 4
HT66VV130 :
SO '
SDI AN
— Speaker
SPI Flash

Note: Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash
connection and programming.
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HT66FV140

* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | HT-PCM12 | HT-UPCMS | HT-PCM16

Resources Use
647/4096 241/4096 51/4096 316/4096 17/4096

PROM(Word) (15%) (6%) (1%) (8%) (1%)
RAM(Byte) 37/256(14%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SPICO, SPIC1, SPID
D/A: USVC, DAH, DAL

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, CTMOCO, CTMOCH1,

CTMOAL, CTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PCS1, PCPU, PBSO

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pins: SCS, SCK, MISO, MOSI

+ PTMO interrupt is used to play voice operations — interrupt entry address: 0CH

+ CTMO interrupt is used for the play sentence operation — interrupt entry address: 08H
+ DAC module is used for the Flash audio data D/A converter — used pins: AUD, AUDIN

+ Power amplifier module — used pins:SP+, SP-

+ Implements the optimize the RAM BANKO area (BANKO0:20/128 (15%); the BANK1:17/128

(13%))

« Different function calls require different PROM sizes — see below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 28
_PLAY_SENTENCE 27
_PLAY_SENTENCE_INDEX 36
_VOLUME 19
_MODIFY_SAMPLINGRATE 11
_ENABLE_VDDIO 3
_PAUSE 3
_RESUME 3
_SLEEP_INIT 13

» Using a specified MCU system frequency, the maximum audio source sampling rate using different

compressed formats is shown in the following table:

Compression I\sllozlt:m Frequency 8MHz 12MHz 16MHz
HT-ADPCM4 13kHz 20kHz 27kHz
HT-PCM12 12kHz 18kHz 24kHz
HT-uPCM8 11kHz 17kHz 22kHz
HT-PCM16 13kHz 19kHz 26kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT66VV 140 for simulating and debugging.
In addition an external SPI Flash is needed.

+ e-Link Pin Assignment:

T -

* VDD[ =~ , | _MISO
LB sCk
02C MOSI

2 6 S
e 7 8 e
O2D7/LED Link Res
9 10
l—- L
—

= CNI

HT66VV140

Speaker

SPI Flash

Note: Refer to “Connection for Programming DAT File to the Flash” section for the SPI Flash
connection and programming.
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HT66FV150

* Resource Usage Table:

Registers used

D/A: USVC, DAH, DAL

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, CTMOCO, CTMOCH1,

CTMOAL, CTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PCS1, PCPU, PBSO

ression Mode | heEAULT | HT-ADPCM4 | HT-PCM12 | HT-UPCMS | HT-PCM16

Resources Use
646/8192 241/8192 51/8192 316/8192 17/8192
PROM(Word) (7%) (3%) (1%) (4%) (1%)
RAM(Byte) 37/512(7%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2
SPI1: SPICO, SPIC1, SPID

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SCS, SCK, MISO, MOSI

+ PTMO interrupt is used for play voice operation — interrupt entry address: 0CH

+ CTMO interrupt is used for the play sentence operation — interrupt entry address: 08H

+ DAC module is used for the Flash audio data D/A converter — used pin: AUD, AUDIN

+ Power amplifier module — used pin:SP+, SP-

+ Implements the optimize the RAM BANKO area (BANKO0:20/128 (15%); the BANK1:17/128

(13%))

« Different function calls require different PROM sizes, see the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 28
_PLAY_SENTENCE 27
_PLAY_SENTENCE_INDEX 36
_VOLUME 19
_MODIFY_SAMPLINGRATE 11
_ENABLE_VDDIO 3
_PAUSE 3
_RESUME 3
_SLEEP_INIT 17

» Using a specified MCU system frequency, the maximum audio source sampling rate using different

compressed formats is shown in the following table:

Compression Msodst:em Freauency ENLis 2= gehiie
HT-ADPCM4 13kHz 20kHz 27kHz
HT-PCM12 12kHz 18kHz 24kHz
HT-uPCM8 11kHz 17kHz 22kHz
HT-PCM16 13kHz 19kHz 26kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT66VV150 for simulating and debugging.
In addition an external SPI Flash is needed.

+ e-Link Pin Assignment:

MISO
SCK
MOSI

CS

Link Res

—ND =] N D e
oS Jilen o o Je SN~ 0 N

CNI1

/

HT66VV150

N

Speaker

SPI Flash

Note: Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash
connection and programming.
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HT66FV160

* Resource Usage Table:

ompression Mode | hECAULT | HT-ADPCM4 | HT-PCM12 | HT-UPCM8 | HT-PCM16

Resources Used
648/16384 241/16384 51/16384 316/16384 17/16384

PROM(Word) (3%) (2%) (1%) (2%) (1%)
RAM(Byte) 38/1024(3%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory 57EH-582H 6FEH-6FFH
address in the PROM 583H-58CH 579H-57DH 702H-703H 700H-704H
Stack (layers) 2

Registers used

SPI1: SPICO, SPIC1, SPID
D/A: USVC, DAH, DAL

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, CTM0CO, CTMOC1, CTMOAL,
CTMOAH
General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
1/0: PCS1, PCPU, PBSO

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage

description:

+ SPI1 is used for controlling the external Flash — used pin: SCS, SCK, MISO, MOSI

+ PTMO interrupt is used for play voice operation — interrupt entry address: 0CH

+ CTMO interrupt is used for the play sentence operation — interrupt entry address: 08H
+ DAC module is used for the Flash audio data D/A converter — used pin: AUD, AUDIN

+ Power amplifier module — used pin:SP+, SP-

+ Implements the optimize the RAM BANKO area (BANKO0:21/128 (16%); the BANK1:17/128

(13%))

« Different function calls require different PROM sizes, as shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 28
_PLAY_SENTENCE 27
_PLAY_SENTENCE_INDEX 36
_VOLUME 19
_MODIFY_SAMPLINGRATE 11
_ENABLE_VDDIO 3
_PAUSE 3
_RESUME 3
_SLEEP_INIT 17

» Using a specified MCU system frequency, the maximum audio source sampling rate using different

compressed formats is shown in the following table:

—— Mo%f'tem A 8MHz 12MHz 16MHz
HT-ADPCM4 13kHz 20kHz 26kHz
HT-PCM12 11kHz 17kHz 23kHz
HT-uPCM8 11kHz 16kHz 22kHz
HT-PCM16 12kHz 19kHz 25kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT66VV160 for simulating and debugging.
In addition an external SPI Flash is needed.

+ e-Link Pin Assignment:

MISO
SCK
[ MOSI

Link Res

— D =] Uh ) ==
;OmG\-F‘I\J

CNI

lsp+
HT66VV130

N

Speaker

SPI Flash

Note: Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash
connection and programming.
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BHG67F2262

* Resource Usage Table:

ompression Mode | heEAyLT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Used
650/16384 241/16384 51/16384 316/16384 17/16384

PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 38/512(7%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack(layers) 2

SPI1: SPICO, SPIC1, SPID

PWM: PWMC, USVC, PLADH, PLADL

Timer: PTM1C0O, PTM1C1, PTM1AL, PTM1AH PTMOCO, PTMOC1, PTMOAL,
PTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

1/0: PMPSO, PBPU, PBS1, PGS1

Registers used

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SPISCSB, SPISCK, SPISDO, SPIS-
DI

+ PTMI interrupt is used for the play voice operation — interrupt entry address: 14H
+ PTMO interrupt is used for the play sentence operation — interrupt entry address: 10H
+ PWM: module is used for the Flash audio data converter — used pin: PWM1, PWM2

+ Implements the optimization for RAM BANKO area (BANKO: 21/128 (16%); BANK1: 17/128
(13%); BANK2: 0/128(0%); BANK3: 0/128(0%))

* Different function calls require different PROM sizes, as shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 28
_PLAY_SENTENCE 27
_PLAY_SENTENCE_INDEX 36
_VOLUME 19
_MODIFY_SAMPLINGRATE 16
_ENABLE_VDDIO 6
_PAUSE 4
_RESUME 4

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed formats is shown in the following table:

;- dzys“’"‘ AT 8MHz 12MHz 16MHz
HT-ADPCM4 13kHz 20kHz 26kHz
HT-PCM12 11kHz 17kHz 23kHz
HT-uPCM8 11kHz 16kHz 22kHz
HT-PCM16 12kHz 19kHz 25kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BH67V2262 for simulating and debugging.

In addition an external SPI Flash is needed.

+ e-Link Pin Assignment

VDD 1 P MISO
3 4 SCK
02C MOSI
———1 6 CS
O2D/LED 7 ; Link Res
— A ——— —
11 12
i
i —s CNI1

+ BH67V2262 pins, VDD, GND, OCDSCK, OCDSDA, are relevantly connected to the e-Link

PWM1 -

BHET7V2262 PWM2 1
AN
Speaker

SPI Flash

Note: Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash

connection and programming.
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BHG67F2472

* Resource Usage Table:

ression Mode

Resources Use

DEFAULT

HT-ADPCM4

PCM8

UPCM8

PROM(Word) 666/32768 (2%) | 1114/32768 (4%) | 309/32768 (1%) | 311/32768 (1%)
RAM(Byte) 46/2048(2%)
Compressed decoding array 500H-8FFH No decoding AOOH-AFEH

stored address in PROM

Other programs fixed memory
address in the PROM

Stack (layers) 2

SPI1: SPICO, SPIC1, SPID

Timer: ATMCO, ATMC1, ATMAL, ATMAH, ATMBL, ATMBH, ATMRP,
PTMOCO, PTMOC1, PTMOAL, PTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

1/0: PDSO, PDPU, PAS1, PBS1

array

Registers used

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SPISCS (PD3), SPISCK(PDO0),
SPISDI(PD1), SPISDO(PD2)

+ ATM interrupt is used for voice playing operation — interrupt entry address: 18H
+ PTM interrupt is used for sentence playing operation — interrupt entry address: 10H

+ Implements the optimization for RAM BANKO area (BANKO: 29/128(22%); BANKI:
17/128(13%); BANK2: 0/128(0%)).

« Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 13
_PLAY_SENTENCE 12
_PLAY_SENTENCE_INDEX 29
_PAUSE 4
_RESUME 4
_ENABLE_VDDIO 6
_VOLUME 4
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* Emulator and Connection

This MCU uses the e-Link simulator and the BH67F2472 for simulating and debugging. In
addition, an external SPI Flash and operational amplifier circuit module are needed.

+ e-Link Pin Assignment

- Lages CET

VDD

For e-Link

Link Res |
OCDSCK |

OCDSDA]

—

— D =] n L —
—_—
(S T e B RN SN S

MISO

SCK
MOSI
SCS

+ BH67F2472 pins VDD, GND, OCDSCK, OCDSDA are relevantly connected to the e-Link

OCDSCK
OCDSDA

BH67F2472

PWM

OP Circuit

SPI Flash

/

Speaker

N

Note: 1. Refer to “Connection for Programming DAT File to the Flash™ section for SPI Flash con-

nection and programming.

2. The following figures show the amplifier reference circuits using the HT82V742 and BJT

respectively.
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+ Use HT82V742

VDD
u7 C15
vss-|||——é VSS VDD § > ||-Vss
e 5 NC OUTl —
= NC oUT2
PWML 4 5 PWM2
IN1 IN2 .SPEAKER
R16 ¢ HT82V742 R17
100K ° 100K .
[ . ;
1 ’
VSS
¢+ Use BIT
VDD
:SF’EAKER
1
1
21,
PWMI R b’ Q3
1K I\‘5805D
= R3
< 10K
GND
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HT45F67

* Resource Usage Table:

AN LD ey HT-ADPCM4 | HT-PCM12 HT-UPCM8
Resources Use
PROM(Word) 707/32768(2%) | 241/32768 (1%) | 98/32768 (1%) | 316/32768 (1%)
RAM(Byte) 40/512(7%)
Compressed decoding array No decoding 600H-6FDH
stored address in PROM 500H-578H array 700H-701H
Other programs fixed memory| 57EH-582H 6FEH-6FFH
address in the PROM 583H-58AH | O oH-S7DH | 704H-T2CH | 2600 703H
Stack (layers) 2

Registers used

SPI1: SPI1CO, SPI1C1, SPI1D
D/A: ADAC, ADAH, ADAL

Timer: TM2CO, TM2C1, TM2AL, TM2AH, TM1CO, TM1C1, TM1AL,

TM1AH

General: ACC, MP1, IAR1, BP, STATUS, TBLP, TBLH, TBHP

I/0: PHPU

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

+ SPIlis used for controlling the external Flash — used pin: SDI1, SDO1, SCK1, SCS1B0

+ Timer?2 interrupt is used for play voice operation — interrupt entry address: 10H

+ Timerl] interrupt is used for the play sentence operation — interrupt entry address: 14H

+ DAC module is used for the Flash audio data D/A converter — used pin: AUD

+ Implements the optimize the RAM BANKO area (BANKO0:23/128 (17%); the BANK1:17/128

(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 20
_PLAY_SENTENCE 19
_PLAY_SENTENCE_INDEX 24
_VOLUME 9
_MODIFY_SAMPLINGRATE 11
_PAUSE

_RESUME

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compression I\iozlt:m Frequency 4MHz 8MHz 12MHz
HT-ADPCM4 6kHz 13kHz 20kHz
HT-PCM12 5kHz 11kHz 17kHz
HT-uPCM8 5kHz 11kHz 16kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT45V67 for simulating and debugging. In
addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

vDD [~ | _Miso
- E
02C MOSI
5 C mEe
we g L8
O2D7LED 9 10 Link Res
11 12

CNl1

e =

/
AUD
HT45V67 |OP IC OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.
2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VCC
<)

AUD . Speaker

OUTN VDD
SPKIN OuTP
VREF NC

47uF

50K

M\

o [N oo

5 OPIC Enable

1
2
3
4 _|vss CE |2 OGP GEna .
10uF Control Bit (to MCU I/O Pin)
HT82V73A
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HT45F65

* Resource Usage Table:

mpression Mode

DEFAULT HT-ADPCM4
Resources Use

HT-PCM12

HT-UPCM8

PROM(Word) 708/8192 (8%) | 241/8192 (2%) 98/8192 (1%) 316/8192 (3%)
RAM(Byte) 40/256 (15%)

Compressed decoding array . 600H-6FDH
stored address in PROM S00H-578H | No decoding array | 741 704y
Other programs fixed memory | 57EH-582H 6FEH-6FFH
address in the PROM 583H-58AH | O/OH-S7DH | 704H-72CH 1 20011 703H
Stack (layers) 2

SPI1: SPI1CO, SPI1C1, SPI1D
D/A: ADAC, ADAH, ADAL

Registers used TM1AH

1/0: PCPU, PDPU

Timer: TM2CO, TM2C1, TM2AL, TM2AH, TM1CO, TM1C1, TM1AL,

General: ACC, MP1, IAR1, BP, STATUS, TBLP, TBLH, TBHP

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support

mixed compression mode)

» The MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SDI1, SDO1, SCK1, SCS1B0

+ Timer?2 interrupt is used for play voice operation — interrupt entry address:18H

+ Timerl interrupt is used for the play sentence operation — interrupt entry address:10H

+ DAC module is used for the Flash audio data D/A converter — used pin: AUD
+ Implements the optimize the RAM BANKO area (BANKO0:23/128 (17%); the BANK1:17/128

(13%))
* Different function calls require different PROM sizes, shown in the table below:
Macro Name PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 20
_PLAY_SENTENCE 19
_PLAY_SENTENCE_INDEX 24
_VOLUME 9
_MODIFY_SAMPLINGRATE 1
_PAUSE
_RESUME

ent compressed format is shown in the following table:

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

Compression?n:::m Frequency 4MHz 8MHz 12MHz
HT-ADPCM4 6kHz 13kHz 20kHz
HT-PCM12 5kHz 11kHz 17kHz
HT-uPCM8 5kHz 11kHz 16kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT45V65 for simulating and debugging. In
addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

MISO

; 5 [Sck
MOSI

S 6 =

7 8 C.Sk

9 10 Link Res

11 12

CNI

+ HT45V65 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
HT45V65 |OP IC OP
AN
qnq(])_“ Control
fﬂ; & Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.
2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VREF NC

vee
AUD . Speaker
8 0—H—||I
OUTN VDD
47yF
50K§ 1 SPKIN ouTP L H
0.1uF 6

5 OPIC Enable

1
2
3
4_{fvss o B .
10pF Control Bit (to MCU 1/0 Pin)
HT82V73A
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HT45F3W

* Resource Usage Table:

ression Mode|  hEEAyLT | HT-ADPCM4 | HT-PCM12 HT-UPCM8
Resources Use
PROM(Word) 717/16384 (4%) | 241/16384 (2%) | 98/16384 (1%) | 316/16384 (2%)
RAM(Byte) 40/512(7%)
Compressed decoding array No decoding 600H-6FDH
stored address in PROM 500H-578H array 700H-701H
Other programs fixed memory| 57EH-582H 6FEH-6FFH
address in the PROM 583H-58AH | O oH-S7DH | 704H-72CH | 2600 703H
Stack (layers) 2

Registers used

SPI1: SPI1CO, SPI1C1, SPI1D
D/A: VOL, DAH, DAL

Timer: TM2CO, TM2C1, TM2AL, TM2AH, TM1CO, TM1C1, TM1AL,

TM1AH

General: ACC, MP1, IAR1, BP, STATUS, TBLP, TBLH, TBHP

1/0: PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: S1DI, S1IDO1, S1CK, S1CS

+ Timer?2 interrupt is used for play voice operation — interrupt entry address: 10H

+ Timerl interrupt is used for the play sentence operation — interrupt entry address: 0CH

+ DAC module is used for the Flash audio data D/A converter — used pin: AUD

+ Implements the optimize the RAM BANKO area (BANKO0:23/128 (17%); the BANK1:17/128

(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 20
_PLAY_SENTENCE 19
_PLAY_SENTENCE_INDEX 24
_VOLUME 9
_MODIFY_SAMPLINGRATE 11
_PAUSE

_RESUME

» Using a specified MCU system frequency, the maximum audio source sampling rate using different

compressed formats is shown in the following table:

mw 4MHz 8MHz 12MHz
HT-ADPCM4 6kHz 13kHz 20kHz
HT-PCM12 5kHz 11kHz 17kHz
HT-uPCM8 5kHz 11kHz 16kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT45V3W for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

e =

VDD 1 ) MISO
B scx
02C MOSI
| 3 6 S
e 4 7 8 e
O2D7/LED Link Res
9 10
11 12
l_
= CNI1

+ HT45V3W VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

HT45V3W

/
AUD OP
OP IC

AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD . Speaker
1 {outn vop |8 +—HF—l
50K § 1 2| SPKIN outp L ATpF
0.1yF 3 VREF NC 8
+10pF J% Ves CE %nﬁ'ﬁo MCU /O Pin)
HT82V73A
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HT66F4550

* Resource Usage Table:

Registers used

ression Mode | heEAULT | HT-ADPCM4 | HT-PCM12 | HT-UPCMS | HT-PCM16
Resources Use
754/8192 243/8192 30/8192 316/8192 18/8192

PROM(Word) (9%) (3%) (1%) (4%) (1%)
RAM(Byte) 45/384(9%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

SPI1: SPICO, SPIC1, SPID

D/A: DAH, DAL

Timer: STM1CO, STM1C1, STM1AL, STM1AH, PTMOCO, PTMOCT,
PTMOAL, PTMOAH
General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
I/0: PASO, PAS1, PCSO0, IFS, PAPU, PCPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SCS(PC0), SCK(PA4), SDI(PA1),

SDO(PC1)

+ STMO interrupt is used for play voice operation — interrupt entry address: 10H

+ PTMO interrupt is used for the play sentence operation — interrupt entry address: 0CH

+ DAC module is used for the Flash audio data D/A converter — used pin: DACO

+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); the BANKI:
17/128(13%); the BANK2: 0/128(0%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_VOLUME 4

_MODIFY_SAMPLINGRATE

1

_PAUSE

_RESUME

» Using a specified MCU system frequency, the maximum audio source sampling rate using different
compressed formats is shown in the following table:

Compression Msodst:em rreauency 2 iz s
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip HT66V4550 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

e =

VDD 1 ) MISO
B scx
02C MOSI
3 6 S
e 4 7 8 e
O2D7/LED Link Res
9 10
11 12
l_
= CNI1

+ HT66V4550 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

SNO

SDIL
K

e —

AUD

HT66V4550 JOP IC

opP

Control

Pin

SPI Flash

N

Speaker

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD . Speaker
T {outn voD |8 I
50K § 1 2| SPKIN outp -~ ATpF
0.1yF 3 VREF N 8
+10pF J% Ves CE %nﬁ)lﬁo MCU /O Pin)
HT82V73A
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BA45F5250

* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
745/8192 243/8192 30/8192 316/8192 18/8192

PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024 (4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: STM1CO, STM1C1, STM1AL, STM1AH, STMOCO, STMOCT,

STMOAL, STMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
I/0: PBSO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:

*

SDO(PB1)

+ STMI interrupt is used for play voice operation — interrupt entry address: 3CH

SPI1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

STMO interrupt is used for the play sentence operation — interrupt entry address: 2CH

+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)

17/128(13%); BANK2: 0/128(0%))

* Different function calls require different PROM sizes, shown in the table below:

Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_VOLUME 4
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3

+ Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compression I;:)erz Frequency 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4KHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz BkHz 10kHZ
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V 5250 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

VDD | ) MISO
LI SCic
02C MOSI
] 6 S
. e 7 8 :
O2D7LED 9 10 Link Res
I—- 11 12
= CNI

e -

+ BA45V5250 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V5250 JOP IC OP
N
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD + Speaker
1| outn vop |8 +—F—
47yF
50K § 1 2| spKiN ouTP -~ H
0.14F 3| VvRer nC |8
+ 4 == 5 OP IC Enable
10pF Vss CE Control Bit (to MCU 1/O Pin)
HT82V73A
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BA45F5260

* Resource Usage Table:

mpression Mode| hepaAyLT | HT.ADPCM4 |  PCM12 UPCM8 PCM16

Resources Used
759/16384 243/16384 30/16384 316/16384 18/16384

PROM (Word) (4%) (2%) (1%) (2%) (1%)
RAM (Byte) 45/2048(2%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

D/A: DAH, DAL

MOAL,
STMOAH

Registers used

SPI1: SIMCO, SIMC2, SIMD

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, STM0CO, STMOC1, ST-

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
1/0: PBSO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support

mixed compression mode)

* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

SDO(PB1)

+ STMO interrupt is used for play voice operation — interrupt entry address: 20H

+ PTMO interrupt is used for the play sentence operation — interrupt entry address: 1CH
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%); BANK2: 0/128(0%))

« Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_VOLUME 4
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compression I\:tt)er: Frequency 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V 5260 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

VDD 1 ) MISO
LI SCic
02C MOSI
] 6 S
. e 7 8 :
O2D7LED 9 10 Link Res

I—- 11 12

= CNI

e -

+ BA45V5260 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

s
AUD
’ BA45V5260 |OP IC OP
. N
QDQ(;)T Control
fﬂ;:E Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VCC
AUD i

+ Speaker

OUTN VDD
SPKIN OouTP

VREF NC
5 OPIC Enable

1
2
3
4 1vss CE > OPIct
10pF Control Bit (to MCU 1/O Pin)
HT82V73A

47F

50K

o N |

MN
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BA45F6750

» Resource Usage Table

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
748/8192 243/8192 30/8192 316/8192 18/8192

PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PBSO, PBS1, PCSO, IFSO, PBPU, PCPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI is used for controlling the external Flash — used pin: SCS(PC3), SCK(PBS), SDI(PC1),

SDO(PB1)

+ STM interrupt is used for play voice operation — interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation — interrupt entry address: 24H

+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB4)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%)

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 1
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 4

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed format is shown in the following table:

m il 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6750 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment

o

For e-Link

VDD

e MISO
Link Res | 3 4 SCK
OCDSCK MOSI
'3 6 —5Cs
OCH§DA' 7 8
L9 10—
1 12—

7
AUD
BA45V6750 |OP IC OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VREF NC

vce
AUD f . Speaker
OUTN vop |8 +—HF—l
50K § 1 SPKIN ouTP L ATuF
0.1uF 6

5 OPIC Enable

1
2
3
4 _|vss CE |2 OGP Ena .
10uF Control Bit (to MCU I/O Pin)
HT82V73A
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» Resource Usage Table

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
748/8192 243/8192 30/8192 316/8192 18/8192

PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PBSO, PBS1, PCSO, IFSO, PBPU, PCPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI is used for controlling the external Flash — used pin: SCS(PC3), SCK(PBS), SDI(PC1),

SDO(PB1)

+ STM interrupt is used for play voice operation — interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation — interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB4)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%)

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 4

ent compressed format is shown in the following table:

* Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

M 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6752 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment

1

For e-Link

VDD

e MISO
Link Res | 3 4 SCK
OCDSCK MOSI
'3 6 —5cs
OCH§DA' 7 8
9 10 p—
I ——

7
AUD
BA45V6752 JOP IC OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VREF NC

vce
AUD f . Speaker
OUTN vop |8 +—HF—l
50K § 1 SPKIN ouTP L ATuF
0.1uF 6

5 OPIC Enable

1
2
3
4 _|vss CE |2 OGP Ena .
10uF Control Bit (to MCU I/O Pin)
HT82V73A
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» Resource Usage Table

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
751/8192 243/8192 30/8192 316/8192 18/8192

PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PASO, PAS1, PBS1, PDSO, IFS0, PAPU, PBPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI is used for controlling the external Flash — used pin: SCS(PA3), SCK(PA1), SDI(PB7),

SDO(PA4)

+ STM interrupt is used for play voice operation — interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation — interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PDO0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%)

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 2

ent compressed format is shown in the following table:

* Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

M 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6756 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment

For e-Link

VDD

e MISO
Link Res | 3 4 SCK
OCDSCK MOSI
'3 6 —5cs
OCH§DA' 7 8
9 10 p—
I ——

ot

+ BA45V6756 VDD, GND, OCDSCK, OCDSDA pin connection to the e-Link

/
AUD
BA45V6756 |OP IC OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VCC
AUD i

+ Speaker

OUTN VDD
SPKIN OouTP
VREF NC

47pF

50K

o [N oo

MV

5 OPIC Enable

1
2
3
4_{vss CE |=>—Crlbrna .
10pF Control Bit (to MCU 1/0 Pin)
HT82V73A
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» Resource Usage Table
ression Mode| LhEEAULT | HT-ADPCM4 |  PCM12 UPCM8 PCM16
Resources Use
751/8192 243/8192 30/8192 316/8192 18/8192
PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2
SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Registers used

Time: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PASO, PAS1, PBS1, PDSO, IFS0, PAPU, PBPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:
+ SPI is used for controlling the external Flash — used pin: SCS(PA3), SCK(PA1), SDI(PB7),

SDO(PA4)

+ STM interrupt is used for play voice operation — interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation — interrupt entry address: 24H

+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PDO0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%)

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 1
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 2

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed format is shown in the following table:

M 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6758 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment

For e-Link

VDD

e MISO
Link Res | 3 4 SCK
OCDSCK MOSI
'3 6 —5cs
OCH§DA' 7 8
9 10 p—
I ——

ot

+ BA45V6758 VDD, GND, OCDSCK, OCDSDA pin connection to the e-Link

7
AUD
BA45V6758 |OP IC OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.
2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD . Speaker
OUTN vop |8 +—HF—i
50K § 1 SPKIN outp |7 ATWF
0.1uF 6

VREF NC
5 OPIC Enable

1
2
3
4_1vss CE |2 OGP tEtna .
10pF Control Bit (to MCU I/O Pin)
HT82V73A
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BA45F5750

* Resource Usage Table:

ssion Mode DEFAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources
748/8192 243/8192 30/8192 316/8192 18/8192

PROM(Word) (9%) (3%) (1%) (3%) (1%)
RAM(Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack(layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: STM1CO, STM1C1, STM1AL, STM1AH, STMOCO, STMOCT,

STMOAL, STM

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

OAH

I/0: PBSO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode).

* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

SDO(PB1)

+ STMI interrupt is used for play voice operation — interrupt entry address: 3CH

+ STMO interrupt is used for the play sentence operation — interrupt entry address: 2CH
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128 (21%); BANK1: 17/128

(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME

ent compressed format is shown in the following table:

 Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

CompressiosntTVIn:) frauency 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4KkHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10KHz
HT-PCM16 2kHz 5KHz T1kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V5750 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

For e-Link

MISO
SCK
MOSI
SCS

VDD

Link Res |
OCDSCK |

— D =] Lh L —
——
o0 O D

e

/
AUD
BA45V5750 |op [C OP
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD f . Speaker
OUTN vop |8 +—HF—!
50K § 1 SPKIN ouTP -~ ATWF
0.1uF 6

VREF NC

5 OPIC Enable

1
2
3
4_{fvss CE (>0t
10pF Control Bit (to MCU 1/0 Pin)
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* Resource Usage Table:

mpression Mode| hepaAyLT | HT.ADPCM4 |  PCM12 UPCM8 PCM16

Resources Used
759/16384 243/16384 30/16384 316/16384 18/16384

PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 45/1024(4%)
Compressed decoding array 500H—578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack(layers) 2

MOAL,
STMOAH

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL
Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, STM0CO, STMOC1, ST-

General:ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
1/0: PBSO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support

mixed compression mode).

* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

SDO(PB1)

+ STMO interrupt is used for play voice operation — interrupt entry address: 20H

+ PTMO interrupt is used for the play sentence operation — interrupt entry address: 1CH
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME

ent compressed format is shown in the following table:

 Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

System Frequency

Compression Mode Ak Ll elak
HT-ADPCM4 2kHz 4kHz 8kHz

HT-PCM12 2kHz 5kHz 11kHz

HT-uPCM8 2kHz 5kHz 10kHz

HT-PCM16 2kHz 5kHz 11kHz

Rev. 2.70
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* Emulator and Connection
This MCU uses the e-Link simulator and the EV chip BA45V5760 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

-

For e-Link

VDD

[y ’ MISO
Link Res | 3 4 SCK
OCDSCK MOSI
N 7 8 SCS
OCDSDA | 9 10
il 12—
T

+ BA45V5760 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V5760 |OP IC OP
. AN
Ql‘)q(])_)] Control
fIHE Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VREF NC

vee
AUD + Speaker
OUTN vop |—&—+—fH—
50K § 1 SPKIN outp (1 ATuF
0.1yF 6

5 OPIC Enable

1
2
3
41 vss CE (9Lt
10pF Control Bit (to MCU 1/0 Pin)
HT82V73A
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* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
748/8192 243/8192 30/8192 316/8192 18/8192

PROM(Word) (9%) (3%) (1%) (3%) (1%)
RAM(Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack(layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD

D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PBSO, PBS1, PCSO, IFSO, PBPU, PCPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode).

* MCU function module usage description:

*

SDO(PB1)

17/128(13%))

STM interrupt is used for play voice operation — interrupt entry address: 2CH

* Different function calls require different PROM sizes, shown in the table below:

SPI is used for controlling the external Flash — used pin: SCS(PC3), SCK(PBS), SDI(PC1),

PTM interrupt is used for the play sentence operation — interrupt entry address: 24H
DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB4)
Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 4

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed format is shown in the following table:

Compression M?)dztem rreauency L Gl SNLIE
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection
This MCU uses the e-Link simulator and the EV chip BA45V6850 for simulating and debugging.

In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

-

For e-Link

VDD

[y ’ MISO
Link Res | 3 4 SCK
OCDSCK MOSI
N 7 8 SCS
OCDSDA | 9 10
il 12—
T

+ BA45V6850 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V6850 |OP IC OP
S N
QDQ(?_)T Control
fS—CE Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vce
AUD f . Speaker
OUTN vop |8 +—HF—l
50K § 1 SPKIN ouTP L ATuF
0.1uF 6

VREF NC
5 OPIC Enable

1
2
3
4_|vss CE |2 OGP GEna .
10uF Control Bit (to MCU I/O Pin)
HT82V73A
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* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
751/8192 243/8192 30/8192 316/8192 18/8192

PROM(Word) (9%) (3%) (1%) (3%) (1%)
RAM(Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack(layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMC1, STMAL,

STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PASO, PAS1, PBS1, PDSO, IFS0, PAPU, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode).

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SCS(PA3), SCK(PA1), SDI(PB7),

SDO(PA4)

+ STM interrupt is used for play voice operation — interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation — interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PDO0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 2

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compressio’:'nemo':requency 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4KkHz 8kHz
HT-PCM12 2kHz 5kHz T1KkHz
HT-uPCM8 2kHz 5kHz 10KHZ
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection
This MCU uses the e-Link simulator and the EV chip BA45V6856 for simulating and debugging.

In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

-

For e-Link

VDD

[y ’ MISO
Link Res | 3 4 SCK
OCDSCK MOSI
N 7 8 SCS
OCDSDA | 9 10
il 12—
T

+ BA45V6856 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V6856 |OP IC OP
S N
QDQ(?_)T Control
fS—CE Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vce
AUD f . Speaker
OUTN vop |8 +—HF—l
50K § 1 SPKIN ouTP L ATuF
0.1uF 6

VREF NC
5 OPIC Enable

1
2
3
4_|vss CE |2 OGP GEna .
10uF Control Bit (to MCU I/O Pin)
HT82V73A
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* Resource Usage Table:

ressionMode | LEEAULT | HT-ADPCM4 | HT-PCM12 HT-UPCM8

Resources Use
467/2048 241/2048 98/2048 316/2048

PROM(Word) (23%) (12%) (5%) (15%)
RAM(Byte) 37/128(28%)
Compressed decoding array No decoding 600H-6FDH
stored address in PROM 500H-578H array 700H-701H
Other programs fixed memory| 57EH-582H 6FEH-6FFH
address in the PROM 583H-58AH | O oH-S7DH | 704H-T2CH | 2600 703H

Stack (layers) 2

SPI1: SIMCO, SIMC1, SIMD

D/A: DACTRL, DAH, DAL

Timer: TMRO, TMROC, TMR1H, TMR1L, TMR1C

General: ACC, MP1, IAR1, INTCO, TBHP, INTC1, TBLP, TBLH, TBHP
1/0: PBPU

Registers used

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:
+ SPI1 is used for controlling the external Flash — used pin: SDI, SDO, SCK, SCS
+ Timerl interrupt is used for play voice operation — interrupt entry address: 10H
+ TimerO interrupt is used for the play sentence operation — interrupt entry address: 0CH
+ DAC module is used for the Flash audio data D/A converter — used pin: AUD

« Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 13
_PLAY_SENTENCE 12
_PLAY_SENTENCE_INDEX 17
_VOLUME 9
_MODIFY_SAMPLINGRATE 1
_PAUSE 3
_RESUME 3

» Under a specified MCU system frequency, the maximum audio source sampling rate using different
compressed format is shown in the following table:

Compression Mgz:tem Frequency 2MHz 4MHz 8MHz
HT-ADPCM4 3KHz okHz 13kH
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-ICE (M1001D+D1088A) for simulating and debugging. In addition an
external SPI Flash and audio amplifier circuit module are needed.

OP T
N

SPI Flash Speaker

HT45V23A

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nectionand programming.

2. The following figure shown an audio amplifier reference circuit using the HT82V73A:

vee
AUD . Speaker
11 outn vop |8 +—HF—!
50K § 1 2| sPkiN ouTP . ATuF
01uF 3| VReF ne |8
+10uF A vss CE %Ei’ﬁo MCU 1/O Pin)
HT82V73A
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* Resource Usage Table:

ressionMode | LEEAULT | HT-ADPCM4 | HT-PCM12 HT-UPCM8

Resources Use
467/4096 241/4096 98/4096 316/4096

PROM(Word) (11%) (6%) (2%) (8%)
RAM(Byte) 37/192(18%)
Compressed decoding array No decoding 600H-6FDH
stored address in PROM 500H-578H array 700H-701H
Other programs fixed memory| 57EH-582H 6FEH-6FFH
address in the PROM 583H-58AH | O oH-S7DH | 704H-T2CH | 2600 703H

Stack (layers) 2

SPI1: SIMCO, SIMC1, SIMD

D/A: DACTRL, DAH, DAL

Timer: TMRO, TMROC, TMR1H, TMR1L, TMR1C

General: ACC, MP1, IAR1, INTCO, TBHP, INTC1, TBLP, TBLH, TBHP
1/0: PBPU

Registers used

Note: 1. The user code cannot occupy the space specified for the decoding array.

2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode)

* MCU function module usage description:
+ SPI1 is used for controlling the external Flash — used pin: SDI, SDO, SCK, SCS
+ Timerl interrupt is used for play voice operation — interrupt entry address: 10H
+ TimerO interrupt is used for the play sentence operation — interrupt entry address: 0CH
+ DAC module is used for the Flash audio data D/A converter — used pin: AUD

« Different function calls require different PROM sizes, shown in the table below:

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 13
_PLAY_SENTENCE 12
_PLAY_SENTENCE_INDEX 17
_VOLUME 9
_MODIFY_SAMPLINGRATE 1
_PAUSE 3
_RESUME 3

» Using a specified MCU system frequency, the maximum audio source sampling rate using different
compressed format is shown in the following table:

Compression Mgz:tem Frequency 2MHz 4MHz 8MHz
HT-ADPCM4 3KHz okHz 13kH
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-ICE (M100D+D1095A) for simulating and debugging. In addition an
external SPI Flash and audio amplifier circuit module are needed.

AN

SPI Flash Speaker

000000000000000

HT45V24A

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.
2. The following figure shows an audio reference circuit built using the HT82V73A:

vee
AUD f . Speaker
11 outn vop |8 +—HF—!
50K § 1 2| spkiN ouTP . ATuF
01uF 3| VRer ne |8
+10HF : vss CE %n;?ﬁo MCU 1/0 Pin)
HT82V73A
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HT68FV022

The MCU frequency and the supported compression modes are listed as follows:
MCU Voice Voice Quality
Operating | Coding High Quality Normal Quality High Compression
Frequency | Mode | ) 5,y Compression Ratio) | (Middle Compression Ratio) | (High Compression Ratio)
PCM v v v
16MHZ u-Law x V v
ADPCM x J v
PCM N v N
12MHZ u-Law x \ v
ADPCM x \ v

The HT68FV022 voice library controller provides the basic settings and applications. There are

three methods to process voice files. The RAM or ROM space left after using their respective

libraries is shown below.

PCM PCM+u-Law PCM+ADPCM | PCM+u-Law+ADPCM
ROM(1Kx14) 499 409 333 243
RAM(64x8) 32 32 27 27

In addition, two interface libraries are provided for users to choose according to their requirements.

The actual programmable space is calculated by deducting the space required by the interface library

from the remaining memory size in the table above.
(1) Direct key — ROM:137; RAM:8
(2) Interface — ROM:109; RAM:9

Rev. 2.70
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BA45F6956

* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
751/8192 243/8192 30/8192 316/8192 18/8192

PROM (Word) (9%) (3%) (1%) (3%) (1%)
RAM (Byte) 45/1024 (4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMCO, STMCA1,

STMAL, STMAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PASO, PAS1, PBS1, PDSO, IFS0, PAPU, PBPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash—used pin: SCS(PA3), SCK(PA1), SDI(PB7),

SDO(PA4)

+ STM interrupt is used for play voice operation—interrupt entry address: 2CH

+ PTM interrupt is used for the play sentence operation—interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter—used pin: DACO(PDO)
+ Implements the optimize the RAM BANKO area (BANKO0:20/128 (21%); the BANK1:17/128

(13%))
* Different function calls require different PROM sizes, as shown in the table below:
Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_VOLUME 4
_ENABLE_VDDIO 2

* Under a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compressio: t;lr: o aueney 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz

PCM12 2kHz 5kHz 11kHz

UPCM8 2kHz 5kHz 10kHz

PCM16 2kHz 5kHz 11kHz
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* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
753/16384 | 243/16384 30/16384 | 316/16384 | 18/16384

PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 45/2048(2%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMOCO, STMOCT,

STMOAL, STMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PBSO, PBS1, PCSO, IFSO, PBPU, PCPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPI1 is used for controlling the external Flash — used pin: SCS(PC3), SCK(PBS5), SDI(PA1),

SDO(PB1)

+ Timer] interrupt is used for play voice operation — interrupt entry address: 2CH

+ TimerO interrupt is used for the play sentence operation — interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO (PB4)
+ Implements the optimize the RAM BANKO are (BANKO: 28/128(21%); BANKI:

17/128(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_ VOLUME 4
_ENABLE_VDDIO 4

* Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed formats is shown in the following table:

Compressio:tl\‘?lr:)1 o aueney 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz BkHz 1kHz
HT-uPCMS8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6760 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

e =

VDD 1 ) MISO
B scx
02C MOSI
| 3 6 S
e 4 7 8 e
O2D7/LED Link Res
9 10
11 12
l_
= CNI1

+ BA45V6760 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

BA45V6760

SPI Flash

/
AUD OP
OP IC

AN
Control
Pin Speaker

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VgC
AUD " Speaker
11 outn vop -8 ¢—H—
4TuF
50K § 1 2| spkiN ouTP L s
0.1uF 3 VREF NC 6
+ 4 == 5 OP IC Enable
10pF vss CE Control Bit (to MCU 1/O Pin)
HT82V73A
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BA45F6766

* Resource Usage Table:

ression Mode | heEAULT | HT-ADPCM4 | PCM12 uPCMS8 PCM16
Resources Use
751/16384 | 243/16384 30/16384 | 316/16384 | 18/16384
PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 45/2048(2%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2
SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL
Registers used Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMOCO, STMO0CH1,
9 STMOAL, STMOAH
General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
I/0: PASO, PAS1, PBS1, PDSO0, IFSO, PAPU, PBPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPII is used for controlling the external Flash — used pin: SCS(PA3), SCK(PA1), SDI(PB7),
SDO(PA4)

+ Timer] interrupt is used for play voice operation — interrupt entry address: 2CH

+ TimerO interrupt is used for the play sentence operation — interrupt entry address: 24H

+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PDO0)

+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%))
* Different function calls require different PROM sizes, shown in the table below:
Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
__ VOLUME 4
_ENABLE_VDDIO 2

* Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed formats is shown in the following table:

Compressio: t;lr: o aueney 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz BkHz 1kHz
HT-uPCMS8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6766 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

e =

VDD 1 ) MISO
B scx
02C MOSI
3 6 S
e 4 7 8 e
O2D7/LED Link Res
9 10
11 12
l_
= CNI1

+ BA45V6766 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V6766 |OP IC OP
N
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

VgC
AUD . Speaker
11 outn vop -8 ¢—F—
47pF
50K § 1 2| spkiN ouTP L s
0.1uF 3 VREF NC 6
+ 4 == 5 OP IC Enable
10pF Vss CE Control Bit (to MCU 1/O Pin)
HT82V73A
Rev. 2.70 127 June 09, 2025



HOLTEK i ’

Voice Workshop User Guide

BA45F6966

* Resource Usage Table:

Compression Mode | necay T | HT.ADPCM4| PCM12 UPCM8 PCM16

Resources Used
751/16384 | 243/16384 30/16384 | 316/16384 | 18/16384

PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 45/2048(2%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed memory | 57EH-582H 579H-57DH 6FEH-6FFH
address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD

D/A: DAH, DAL

Timer: PTMCO, PTMC1, PTMAL, PTMAH, STMOCO, STMOC1, ST-

MOAL, STMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

I/0: PASO, PAS1, PCS1, PDSO0, IFSO, PAPU, PCPU

Note: The user code cannot occupy the space specified for the decoding array.

* MCU function module usage description:

+ SPII is used for controlling the external Flash — used pin: SCS(PA3), SCK(PA1), SDI(PCS),

SDO(PA4)

+ Timer] interrupt is used for play voice operation — interrupt entry address: 2CH

+ TimerO interrupt is used for the play sentence operation — interrupt entry address: 24H
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO (PDO0)
+ Implements the optimize the RAM BANKO area (BANKO: 28/128(21%); BANKI:

17/128(13%))

* Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
_MODIFY_SAMPLINGRATE 11
_PAUSE 3
_RESUME 3
_ VOLUME 4
_ENABLE_VDDIO 2

* Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed formats is shown in the following table:

a— :t;l': AT 2MHz 4MHz 8MHz
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V6966 for simulating and debugging.
In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

e =

VDD 1 ) MISO
B scx
02C MOSI
| 3 6 S
e 4 7 8 e
O2D7/LED Link Res
9 10
11 12
l_
= CNI1

+ BA45V6966 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

SPI Flash

/
AUD
BA45V6966 |OP IC OP
AN
Control
Pin Speaker

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD . Speaker
11 outN vop |8 +—HF—i
50K § 1 2| spkiN ouTP |~ 47uF
0.1uF 3 VREF NC 8
+10uF J% Vss CE %Ei}l&o MCU 1/0 Pin)
HT82V73A
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BHG67F2476

* Resource Usage Table:

mpression Mode

DEFAULT HT-ADPCM4 UPCMS8
Resources Use
PROM(Word) 710/32768 (2%) 1114/32768 (4%) 311/32768 (1%)
RAM(Byte) 46/2048(2%)
Compressed decoding array 500H—8FFH AOOH-AFFH

stored address in PROM

Other programs fixed memory
address in the PROM

Stack (layers) 2

SPI1: SIMCO, SIMC2, SIMD

Timer: ATMCO, ATMC1, ATMAL, ATMAH, ATMBL, ATMBH, ATMRP,
Registers used PTMOCO, PTMOC1, PTMOAL, PTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

1/0: PCS0, PCS1, PCPU, IFSO, PGSO, PGS1, PMPS

Note: The user code cannot occupy the space specified for the decoding array.
* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PC4), SCK(PC5), SDI(PC6),
SDO(PC7)

+ ATM interrupt is used for voice playing operation — interrupt entry address: 18H
+ PTM interrupt is used for sentence playing operation — interrupt entry address: 10H

+ ATM module is used for audio PWM output of audio data read from external Flash — used pin:
ATP_PWMI1(PG3), ATP_ PWM2(PG4)

+ Implements the optimization for RAM BANKO area(BANKO: 29/128(22%); BANK1: 17/128
(13%))

* Different function calls require different PROM sizes, shown in the table below

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 13
_PLAY_SENTENCE 12
_PLAY_SENTENCE_INDEX 29
_PAUSE 4
_RESUME 4
_ENABLE_VDDIO 6
_ VOLUME 4

 Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed formats is shown in the following table:

- stem Frequency 8MHz 12MHz
Compression Mo

HT-PCM12 11kHz 17kHz

HT-uPCM8 11kHz 16kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the BH67F2476 for simulating and debugging. In

addition, an external SPI Flash and operational amplifier circuit module are needed.

+ e-Link Pin Assignment

- i CETE

VDD

For e-Link

Link Res |
OCDSCK |

OCDSDA]

—

— D =] n L —
—_—
(S T e B RN SN S

MISO
SCK
MOSI
SCS

+ BH67F2476 pins VDD, GND, OCDSCK, OCDSDA are relevantly connected to the e-Link

OCDSCK
Q DA

BH67F2476

SDO
SDI

PWM

SPI Flash

OP Circuit

/
Speaker

N

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figures show the amplifier reference circuits using the HT82V742 and BJT

respectively.
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+ Use HT82V742

VDD
u7 C15
vss-|||——é VSS VDD § > ||-Vss
e 5 NC OUTl —
S NC OUT2
PWM1 4 5 PWM2
INI IN2 .SPEAKER
R16 ¢ HT82V742 R17
100K § 100K !
[ . ;
1 ’
VSS
¢+ Use BIT
VDD
:SPEAKER
1
1
21,
PWMI R b’ Q3
1K I\‘5805D
= R3
< 10K
GND
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BH67F2495

* Resource Usage Table:

ression Mode

DEFAULT HT-ADPCM4 UPCMS8
Resources Use
PROM(Word) 710/65536 (1%) 1114/65536 (2%) 311/65536 (1%)
RAM(Byte) 46/4096(1%)
Compressed decoding array 500H—8FFH AOOH-AFFH

stored address in PROM

Other programs fixed memory
address in the PROM

Stack (layers) 2

SPI1: SIMCO, SIMC2, SIMD

Timer: ATMCO, ATMC1, ATMAL, ATMAH, ATMBL, ATMBH, ATMRP,
Registers used PTMOCO, PTMOC1, PTMOAL, PTMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS

1/0: PCS0, PCS1, PCPU, IFSO, PGS0, PGS1

Note: The user code cannot occupy the space specified for the decoding array.
* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PC4), SCK(PC5), SDI(PC6),
SDO(PC7)

+ ATM interrupt is used for voice playing operation — interrupt entry address: 18H
+ PTM interrupt is used for sentence playing operation — interrupt entry address: 10H

+ ATM module is used for audio PWM output of audio data read from external Flash — used pin:
ATP_PWMI1(PG3), ATP_ PWM2(PG4)

+ Implements the optimization for RAM BANKO area (BANKO: 29/128(22%); BANKI1:
17/128(13%))

* Different function calls require different PROM sizes, shown in the table below

Macro Name PROM Size Cost Per Call (Unit: Word)
_PLAY_VOICE 13
_PLAY_SENTENCE 12
_PLAY_SENTENCE_INDEX 29
_PAUSE 4
_RESUME 4
_ENABLE_VDDIO 6
_ VOLUME 4

+ Using a specified MCU system frequency, the maximum audio source sampling rate using differ-
ent compressed formats is shown in the following table:

stem Frequency
Compression Mo 12MHz
HT-PCM12 17kHz
HT-uPCM8 16kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the BH67F2495 for simulating and debugging. In

addition, an external SPI Flash and operational amplifier circuit module are needed.

+ e-Link Pin Assignment

- i CETE

VDD

For e-Link

Link Res |
OCDSCK |

OCDSDA]

—

— D =] n L —
—_—
(S T e B RN SN S

MISO
SCK
MOSI
SCS

+ BH67F2495 pins VDD, GND, OCDSCK, OCDSDA are relevantly connected to the e-Link

OCDSCK
Q DA

BH67F2495

SDO
SDI

PWM

SPI Flash

OP Circuit

/
Speaker

N

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-

nection and programming.

2. The following figures show the amplifier reference circuits using the HT82V742 and BJT

respectively.
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+ Use HT82V742

VDD
u7 C15
vss-|||——é VSS VDD § > ||-Vss
e 5 NC OUTl —
= NC oUT2
PWML 4 5 PWM2
IN1 IN2 .SPEAKER
R16 ¢ HT82V742 R17
100K ° 100K .
[ . ;
1 ’
VSS
¢+ Use BIT
VDD
:SF’EAKER
1
1
21,
PWMI R b’ Q3
1K I\‘5805D
= R3
< 10K
GND
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BA45F25250

* Resource Usage Table:

ressionMode | necAyLT | HT-ADPCM4 | PCM12 UPCM8 PCM16

Resources Use
745/8192 243/8192 30/8192 316/8192 18/8192

PROM(Word) (9%) (3%) (1%) (3%) (1%)
RAM(Byte) 45/1024(4%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed mem- | 57EH-582H 579H-57DH 6FEH-6FFH
ory address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD

D/A: DAH, DAL

Timer: STM1CO, STM1C1, STM1AL, STM1AH, STMOCO, STMOC1,

STMOAL, STMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
I/0: PBSO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode).

* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

SDO(PB1)

+ STMI interrupt is used for play voice operation — interrupt entry address: 3CH

+ STMO interrupt is used for the play sentence operation — interrupt entry address: 2CH
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)

« Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
__VOLUME 4
_MODIFY_SAMPLINGRATE 11
_PAUSE

_RESUME

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compression ?w:ctlim Freauency 2Lz iz SHILIE
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V25250 for simulating and
debugging. In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

VDD | ) MISO
LI SCic
02C MOSI
] 6 S
. e 7 8 :
O2D7LED 9 10 Link Res
I—- 11 12
= CNI

e -

+ BA45V25250 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V25250 0P IC Oop
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD + Speaker
1| outn vop |8 +—F—
47yF
50K § 1 2| spKiN ouTP -~ H
0.14F 3| VvRer nC |8
+ 4 == 5 OP IC Enable
10pF Vss CE Control Bit (to MCU 1/O Pin)
HT82V73A
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BA45F25260

* Resource Usage Table:

ression Mode

DEFAULT | HT-ADPCM4 PCM12 UPCM8 PCM16
Resources Use

759/16384 | 243/16384 30/16384 316/16384 18/16384
PROM(Word) (4%) (2%) (1%) (2%) (1%)
RAM(Byte) 45/2048(2%)
Compressed decoding array 500H-578H No decoding | 600H-6FDH | No decoding
stored address in PROM array 700H-701H array
Other programs fixed mem- | 57EH-582H 579H-57DH 6FEH-6FFH
ory address in the PROM 583H-58CH 702H-703H
Stack (layers) 2

Registers used

SPI1: SIMCO, SIMC2, SIMD
D/A: DAH, DAL

Timer: PTMOCO, PTMOC1, PTMOAL, PTMOAH, STMOCO, STMOC1,

STMOAL, STMOAH

General: ACC, MP1, IAR1, TBLP, TBLH, TBHP, PCL, STATUS
I/0: PASO, PBS1, IFS, PBPU

Note: 1. The user code cannot occupy the space specified for the decoding array.
2. Calculate cost PROM space: the Default + the selection of compression mode (can support
mixed compression mode).

* MCU function module usage description:

+ SPII1 is used for controlling the external Flash — used pin: SCS(PB4), SCK(PB2), SDI(PB3),

SDO(PB1)

+ STMO interrupt is used for play voice operation — interrupt entry address: 20H

+ PTMO interrupt is used for the play sentence operation — interrupt entry address: 1CH
+ DAC module is used for the Flash audio data D/A converter — used pin: DACO(PB0)

« Different function calls require different PROM sizes, shown in the table below:

Macro Name

PROM Size Cost Per Call (Unit: Word)

_PLAY_VOICE 14
_PLAY_SENTENCE 13
_PLAY_SENTENCE_INDEX 30
__VOLUME 4
_MODIFY_SAMPLINGRATE 11
_PAUSE

_RESUME

» Using a specified MCU system frequency, the maximum audio source sampling rate using differ-

ent compressed format is shown in the following table:

Compression ?w:ctlim Freauency 2Lz iz SHILIE
HT-ADPCM4 2kHz 4kHz 8kHz
HT-PCM12 2kHz 5kHz 11kHz
HT-uPCM8 2kHz 5kHz 10kHz
HT-PCM16 2kHz 5kHz 11kHz
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* Emulator and Connection

This MCU uses the e-Link simulator and the EV chip BA45V25260 for simulating and
debugging. In addition an external SPI Flash and audio amplifier circuit module are needed.

+ e-Link Pin Assignment:

VDD | ) MISO
LI SCic
02C MOSI
] 6 S
. e 7 8 :
O2D7LED 9 10 Link Res
I—- 11 12
= CNI

e -

+ BA45V25260 VDD, GND, OCDSCK, OCDSDA pins connection to the e-Link.

/
AUD
BA45V25260|Op [C Oop
AN
Control
Pin Speaker

SPI Flash

Note: 1. Refer to “Connection for Programming DAT File to the Flash” section for SPI Flash con-
nection and programming.

2. The following figure shows an audio amplifier reference circuit using the HT82V73A:

vee
AUD + Speaker
1| outn vop |8 +—F—
47yF
50K § 1 2| spKiN ouTP -~ H
0.14F 3| VvRer nC |8
+ 4 == 5 OP IC Enable
10pF Vss CE Control Bit (to MCU 1/O Pin)
HT82V73A
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HT68RV032_033_034_035_036

* The MCU frequency and the supported compression modes are listed as follows:

MCU Operating Frequency Voice Coding Mode
PCM12
ADPCM4
12MHz
ADPCM5
u-law

* The HT68RV032 033 034 035 036 voice library controller provides the basic settings and
applications. There are five interface modes. The RAM or ROM space left after using their
respective libraries is shown below.

Interface Mode None 1-Wire / 2-Wire
(No Interface is Selected) | Direct Key / I>°C / SPI
ROM (2Kx16) 1054x16 310x16
RAM (128x8) 64%8 11x8

* Emulator and Connection

This MCU uses the e-Link Pro2 simulator and the EV chip HT68EVV032 033 034 035 036 for
simulating and debugging.

+ e-Link Pro2 Pin Assignment:

)
N VDD 1 3 SPI MISO
N s 4 SPI SCK
> OCDSCK s e SPI MOSI
) -
OCDSDAS ; 1?)
GND 1 1> SPI CS
—_ e-Link Pro2

+ HT68EVV032 033 034 035 036 VDD, GND, OCDSCK, OCDSDA, SPI pins connection to
the e-Link Pro2.

HTB8EVV032_033
034_035_036
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4. Audacity Quick Start
Audacity Summary

Audacity is a free, open source (cross-platform) digital audio editor, recorder and mixer. The
software can run on Windows, Mac OS X, GNU/Linux and other operating systems. It is a mature
software application that comes with a long list of features such as:

* Recording

» Change tapes to digital recording or CD

« Edit Ogg Vorbis, MP3 and WAV files

» Cut, copy, paste and multitrack mixing

+ Change the recording rate or pitch

Note: you can download the Audacity software for free on the website:

http://audacity.sourceforge.net

Audacity Processing Flow

Importing Audio
Extract audio CDs to WAV format or import WAV, AIF9F, OGG or MP3 files into Audacity for
direct use or recording
Basic Audio Processing Operation
Basic splicing(delete, insert, copy) volume control(envelope/amplify)
fade in/fade out, noise removal

insert a fixed length, silence a track, mix tracks, change the pitch

Exporting audio files

To export as wayv, aiff, mp3 or ogg file and burn to Audio CDs.
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Quick Start

1. Right double-click the icon

Fle Edit View Transport Tracks Generste Effect Analyze

Help

to open the Audacity software and the following interface appears:

SIJ]

=l AE

*|

J¥o) } b B B

I
IR

Wow BB 20 P ® B 20

)

HAe o

el

Bl

W

b [s@njw] o]c] Of »

2l2lefplie 2

2.0 3.0 4.0
I - v A I

‘

50
i

A

50 70 20

= Projed Rale (Hz):
=| 44100

= | SnapTo

Selection Start

@ End ) Length

Audio Position:

* Audacity Interface Toolbars Overview

IO

P

el
o X

JIINIIIEIN,

+ Audacity Transport Toolbar Description

Skip to start

Temporarily pauses playing or
recording without losing the present
location. Click Pause a second time

to resume.

Standard-speed playback. If an area
of track is selected, only that selection
will be played.

Stop playing or recording immedi-
ately.

L n

Start recording at the current cursor
position.

B =

Skip to End.

+ Audacity Tools Toolbar Description

Selection- click and drag to select a
range of audio to play or edit

Zoom- zoom in or zoom out the track

Envelope- made smooth volume
change over the length of a track

Time shift- drag audio tracks left or
right

[ | Pk | =

Draw- adjust the volume level of indi-
vidual audio samples

EAEAR

Multi- Combine several tools into
one. One tool is available at a time
according to the mouse position or

the pressed button.
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2. Importing audio:

There are usually the following three conditions:

+ Import music on an audio CD — necessary to “rip” the music into an audio file in a wav format

first.

+ Import a recording — necessary to use appropriate software such as microphone recording soft-

ware.

+ Import wav, aiff, ogg or mp3 file — directly open and use.

Choose “File” — “Import” — “Audio” and select the audio file on your PC.

[ @ Audacity

[Fl) €dit View Tramspon Tracks Generate Effect Analyze Help i

New

Open...

| Racent Files
Clote

Save Project
Sove Project As...
Check Dependencies...
Edit Metadate..
Import

Export_.

Export Selection.

Export Labels_.

| Export Multiple..
Export MIDL..
Apply Chain...
Edit Chains...
Page Setup..
Print...

Exit

Save Compressad Copy of Projact -

o | 210 Ll i !
ko Nkl v 22 0 P 38 34 2 0
M@t o] O sla[L]2]b

-

Cel+ S

SO .S S 5.8 O ¢ S v.(

3 Audio...
Labeks..

Ctrl+Shaft+]
Ctrl +Shift+E

Raw Data...

Ctrl+Shift+L

n

= Select one or more audio files...

Look in:

¥

Recent Places

Desktop

Libraries

' 4

Computer

'

| music

Name
%OOI_en,wav

e 1-04-221 pkef

7] 1-04-22K wav

7]1-18-22K.wav

%002_en,wav

(IB_en.wav

%W_en,wav

%msfenwav

@m&_en,wav

%M?_en,wav

,“‘;jA Whole New World_V_22K.pkf
5] A Whole New World_V_22K.wav

< 1 3
Network
Files oftype: All files - ] ’ Cancel ]
—— —— ||
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The following interface appears after importing the audio file:

€ AWhole New World_ V22K . =

|[ File Edit View Transport Tracks Generate Effect Analyze Help

e o
J / / J / j ‘H X| | 4w B 2 -2 u,ﬁﬂ 36 24 A2 0

 EE—y —— s e[ ufw] o] o slel2lellbfe =

I o] -2l o] d ]

L v T s L
XA Whole Ne | 1.0 -
Mono, 22050Hz
32-bit float 05+ |

Mute Solo

< .

E Project Rate (Hz): Selection Start: @ End ) Length Audio Position:
22050 | SnapTo[ |[00 h 00 m00.000s~ [00h00mMD0.000 s | [oohoomonooo s

3. Basic processing for the imported audio:
* Basic splicing — delete, insert and copy
+ Delete:select an audio range - click the left mouse button and drag to the other edge of your se-
lection and release, then click the Delete button to remove the selection.
Before deleting the selection:

Select the region to delete

AT I8, I S0 T B R X1 e

' "'uwpnnq]wp”plrzlr T
‘mﬁlﬂihjun 1T .

!‘[ﬂwwﬂﬂq F | ]”f\] " T "] [] |
M&Uhl“h]uﬂi Gl 1o .

After deleting the selection:

Mhm}\lm sl Lu.h u ih\ Il kil l

MWL
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+ Copy and paste:select a track range then press the Copy button ﬁ, click the mouse at the point
where to insert the clip and then press the Paste button %

Note: IF copying the audio track from another file first you need to open the file, File — Open.

After this, two Audacity windows are shown, copy the selection, and paste % it at the
point where you want it located in the first window.

Before copy and paste:

Paste at this point

'I:!I} 1:‘!5

-15

X|Besthoven’ ¥ 1,
I L 44100Hz|
oM Fm
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. Change the sampling rate of the voice source, as shown below:

1 BT Y
) B iz oo )J 3 a4 a2 uPt|h|‘|—N|“| ale| & 2le2]2)]
-5l = = |

Move Track Up
Move Track Down
Wavefarm
Woveform (dB)
Spectragram
Spectragram log(f)
Pitch (EAC)

Make Stereo Track
Split Sterec Track
Spiit Stereo to Mono
Sat Sample Format
Set Rate

* Volume control — envelope

=
After selecting the Envelope tool ﬁ, by clicking in the track you can see some “white points”.
Then set the volume of that point by dragging one of its four vertically arranged “handles”.

Before changing volume:

After changing volume

' : VTRANATN (T
, : ol e A

TR T
mwun.,uiw o
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» Effects:

Click “Effect” to choose the following effects:

@ AWhole NewWorld V.26

. T S il .. |

Fle Edt View Trampont Trotks Generate Anshze Relp

Repast Last Effect

R,

POPDD

CulsR

jEEDE

bAe b
alc] o] alel2le]

a2 o'}]jfx*;u & o]
==

100

Shiding Time Scale/Pitch Shift..
Truncate Silence._.
Wahwah

Adpustable Fade...
Clip Foc_

Cross Fade Out
Hard Limiter_
High Pass Filter..
Low Pass Filter_
MNotch Flter..
sca_

Studio Fade Cut

f:mmmm
| 22050 -

¢+ Cross Fade In/Cross Fade Out function:

After a Cross Fade In

Before a Cross Fade In
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Before a Cross Fade Out After a Cross Fade Out
+ Noise Removal
Noise Removal can reduce constant background sounds.

a. Select a track region — about 0.5s~2s long is ideal — which contains only noise to let
Audacity know what to filter out.
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b. Click “Effect” — “Noise Removal”:
(2 Avhole Newiord v 22k Sl Ml A Bl Aol S R e e e TR el

ﬁhmmrmmdsq.w@mm

‘ & 3 ] Repeat Last Effect
MESIEEY =
T ’_ f—h Auts Duck..
Bass ond Treble...
Change Pitch...
Change Speed...
Change Tempo..
Click Remaval...
| TR
| Equalization_.
Fade In
Fade Out
Irvert
Leveler..

Sliding Time Scale/Piich Shift
Truncate Silence...
Wahwah...

Adjustable Fade._
Clip Fi..

Cross Fadeln
Cros Fade Out
Delay...

Hard Limiter_
High Pass Fiter._
Low Pass Filter...
MNotch Fker...
SCa_

Shudic Fade Out

Cul4R

Tz

)

Tx (a0 o :»\ o Alal2l2l

=

c. After clicking “Noise Removal” and setting up some related parameters, click “OK” and

the processed waveform can be seen:

-48dB+
-60dB

_60dB 48dB 42dB -36dB -30dB

24dB 12dB -12dB -6dB 0dB

Threshold:

-
J

Moise Floor:

Ratio:

Atfack Time:

Decay Time: U

2:1

0.2 secs

1.0 secs

Make-up gain for 0dB after compressing [~ Compress based on Peaks

Lok

” Cancel
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Before Noise Remova After Noise Removal

+ Silence the selection:

Select the track region you want to silence then click the Mult Button

Before Mult After Mult
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+ Mixing Audio Tracks:
Mixing refers to the process of combining multiple Audacity tracks into a single track. For
example, mixing a voice with music to add a background musical effect. If you want to add
another track, choose “Track” — “Add New” — “Audio Track”, and then paste the clip you

need onto the new track.

£ AWnhole New T—— N ) T ———

Fle Edit View ijp_:: Ganerste Effsct Anahze Help

E | AddNew P AudioTrack Corl+Shifta N e = b ‘
Sl I == alainls] o[~ & #2202

E [ T :':.'H::”d' Time Track EE I

Remave Tracks

Mute AN Tracks.

Unmute All Tracks.

Align Tracks

Mave Selection when Aligning
Sync-Lock Tracks.

Add Label A2 Selection

Add Label A2 Playback Position
Edit Lobeks...

Sort Tracks

+ Exporting Audio
Export a wav / aiff / mp3 / ogg file.
After completing the audio processing, Audacity can export the file in the above formats.
(Note: The Voice platform only supports WAV audio format)

Choose “File” — “Export” and then select the folder location and audio format.

Name

) 001 enuwav
104 22K
L1822

Lipraries | 006_an.way

31007 _anwav
ﬁ A, Whobke Mew Workd_Y_22K way

‘Computer | Bearcal_16kwav

n
@
= Fila nama: A Whele New World_V_T7

Network
Gl 7T T —

Qther uncamprassed fles

Project Rate (Hz): Selectan Start @ End (length  Audio PRHA [AAC) Files (Frmpag)
200 « | spTol [0 e
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5. Adobe Audition CS6 Brief Tutorial
Introduction

The Adobe Audition (formerly Syntrillium Cool Edit Pro) software is a complete multitrack
recording studio for Windows-based PCs. Adobe purchased Cool Edit Pro from Syntrillium
Software Company in May 2003 and then changed the name of Cool Edit Pro to “Adobe Audition”.
Adobe Audition is a professional audio editing environment which offers advanced audio multi
track, mixing, editing, controlling and effects processing capabilities. It can mix up to 128 tracks,
edit individual audio files, create loops and import more than 45 DSP (digital signal processing)
effects.

Adobe Audition provides a fully-integrated audio editing and mixing solution for music, video,
radio, and sound design professionals with integrated multitrack and edit views, real-time effects,
looping support, analysis tools, restoration features, and video support. Users benefit from real-
time audio effects that allow them to hear changes and track EQ instantaneously. Flexible looping
tools and thousands of high-quality royalty-free music loops are included to assist in soundtrack and
music creation.

The intuitive, customizable interface allows users to dock and resize windows to create an efficient
audio workspace. An organizer window uses tabs to track open files, effects and favorites. Batch
processing tools streamline everyday tasks, such as matching the overall loudness of multiple files
or converting them to a standard file format.

Adobe Audition provides quality audio for video projects by allowing users to edit, mix and add
effects to AVI soundtracks while watching movie playback. Providing extensive support for industry-
standard audio file formats including WAV, AIFF, MP3, MP3PRO and WMA, Adobe Audition can
also handle files with bit depths of up to 32-bit and sample rates in excess of 192 kHz. This enables
export to tape, CD, DVD or DVD-audio, with the highest-quality sound.

Quick Start

Edit a single audio file

Open the software and choose “File” — “Import” — “File”, as shown below:
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After importing an audio file:

e
i

Select the region you want to process and choose “Edit” — “Delete” / “Cut” / “Copy” / “Paste”...
depending upon the required action.

(o] Adobe Audition
wEe LU Shemw wHO H80 $mEe SEW E0a Hbw

T BREE @ Cerl4Shi frdd

TIAmD

B )
BELEERRE B
L] CreLiE

p L) CerldC
TUHTTE SRFWALUE

a1

CheldT

WREEERO..
b wasrEn

BREEERE)..
R

W wn
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Choose “Edit” — “Convert Sample Type” and set the required Sample Rate and Bit Depth .

Convert Sample T_ - &J
- N h—_
o 'I.: v o

i

Sample Rate Conversion

Sample Rate: TN ~ H:

»  Advanced

Channels
Channels:  Same as Source

»  Advanced

Bit Depth
Bit Depth: FTTNNNNN ~ | bits

¢ Advanced

Cancel

There are many effects can be added to the audio clip according to the user’s specific desire. The
following is an example of how to change the audio clip volume.

Select the audio you want to change and choose “Effects” — “Amplitude And Compression” —
“Amplify”.
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Click “Amplify” after which the following window will appear. Change as required and then click
“Apply”. The volume will then be changed.

s it - - — - TS _rs_!"

After the Editing is finished, click “File”, choose “Export” — “File”. In the following Export file
dialog box, you can view or adjust the saved file parameters. Finally, click “OK” when you have
confirmed the setting options.
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Export File

File Name:

Location:

Format:
Sample Type:

Format Settings:

Wave PCM (=.wav, *.bwf)
22050 Hz Mono, 16-bit

Wave Uncompressed
16-bit Integer

¥ Include markers and other metadata

Estimated File Siz

Edit Recording

e: 1.82 MB

Open the software and choose “File” — “New” — “Multitrack Session”, set the options for the new

multitrack session, such as the Sample Rate and the Master, as shown below.
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‘Mew Multitrack Sessio

Session Name:

Folder Location:

Template: = Mone

Sample Rate:

Bit Depth:

Master:

After creating the Session, we insert background music, to achieve the effect of mixing a vocal
recording with background music. As shown in the figure below, we insert the background music in
the specified empty track, here we use Track 1. Right-click on Track 1, and choose “Insert” — “Files”.
If you need insert a few pieces of music or sound effects, repeat the steps. However take care not to
locate files where the music overlaps, unless these effects are required.
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After inserting the background music, click the red Record button “R” on Track 2, which means
we will record the voice onto Track 2. Of course, you can also record the voice onto other tracks,
however in this example we use Track 2. As shown in the figure below, click the red Record button

to start recording with the background music simultaneously.

Now we have a recording so let’s begin to edit the audio. As shown below, double-click the voice
waveform in Track 2 and enter the single track edit view.

2P
+H- Track 1
il @ el @

+h Track 2

il & Il @
= " None

Rev. 2.70 158 June 09, 2025



Voice Workshop User Guide HDLTEK#

In the single track editor, we can obtain the audio signal loudness by listening to it or by watching the

waveform amplitude. We can select a specified range to adjust the volume, as shown below:

Removing any noise is actually very simple. For some external environment noise like mouse clicks,
coughs, we can select the noise waveform and directly delete it. For other internal environmental
noise which can be power-line hum noise or others which may not be in the voice, first we select a

range for this noise. After the selection, click “Effects”, as shown in the following figure:
0 b s T T T T W . - il

1 W
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Choose “Effects” — “Noise Reduction/Restoration” — “Noise Reduction (process)”

e~ s gl

There are also many other voice process functions including reverb, echo, time and pitch
manipulation effect, etc., which can all can be obtained in the “Effects” options. Now let’s learn how
to create an entire composition of background music and voice. As shown below, right-click on any
empty track, select “Mixdown Session to New File” — “Entire Session” .

R & & & & & & W = = N =
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After you finish mixing a session, it switches to the single track editor, as shown below. Then choose
“File” — “Export” — “File”. In the following Export file dialog box, you can view or adjust the
specific parameters about the saved file. Finally, click “OK” when you have confirmed the setting
options.

——
Export File

U ST Mission Impossible 22K 01 . wav
Location: | ~ Browse...

Format = Wave PCM (*.wa,

ample Type: 22050 Hz Mono, 16-bit

Format Settings:  wave Uncompressed
16-bit Integer

¥ Include markers and other metadata

Estimated File Size: 1.82 MB
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6. Appendix

Call Integrated Library for Emulated ISP Solution Considerations

This section mainly introduces how to call the Voice Library in the HT-IDE3000 project and what to
pay attention to when using the emulated ISP solution.

Generate emulated ISP project and add Voice Library into it

1. Use the Voice Workshop to generate a Voice library (Refer to the “S/W Operation Quick Start”
section for operating details)

2. Use the HT-IDE3000 to create an ISP project, take the BH67F2472 as an example, the steps are as
follows:

Step 1: Start the HT-IDE3000, click Project — New

Step 2: Select BH67F2472 in Project MCU, then check Use Emulated ISP Code, click Next when

finished

Project Location - Step1 X

Project Name
[eHB7F2472 |

Project Location

[CAHTK Project [-]

Project MCU
|BH6?F24T2 \,‘

Create directory for project

| Use Emulated ISP Cade | MCU Information

RAM Size: 16 Bank(s)
Choose Language Tool : ROM Size: 8000H
Holtek C Compiler V3(V3.70)/Assembler Stack Size: 16

. . BootLoader Size: 340H
More project settings

< Back (B) Mext (M) = Cancel

Step 3: The default Application Start Address is 340H, click “Next (N) > until the project is completed

Project Location - Step2 X

Bootloader project name

BHG7F2472 BL

Application project name Application Start Address

BH67TF2472_AP | 340]l3]

Signature

5544 H

< Back (B) Mext (M) > Cancel
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3. Click Option — Project settings, copy the Voice Library folder generated in the step 1 to the
project folder generated by the HT-IDE3000. Adding library files and paths are shown as follows

Project settings K

Project Option  Debug Option Directories Document Production

Micro Controller BHETF2472

Language

Holtek C Compiler V3(V3.70)/Assembler ~ Build Option... ISP Bootloader Option

\'3 C compiler revision notes

Assembler/Compiler Options

Define Symbol | _V3_,_PBP_=2 Disable_Bit_Initial,

Generate listing file Generate Project listing file(list)

Linker Options

Libraries | |BH6?F24?2_\-’Dice_Library.lib,

Section address |_CROM2PROM=1DDD, |

Generate Map File

Project settings
Project Option Debug Option Document  Production

Output files path:

| CAHTK Project\BHG7F247 2\BHGTF2472_AP

Show directaries for:
Library paths ~

Directories:

CA\Program Files\Holtek MCU Development Tools\HT-IDE3000VE.5\LIB
CAHTK_Project\BHGTF2472\Vaice library

Rev. 2.70 163 June 09, 2025



HOLTEK

Voice Workshop User Guide

4. Add the library function required relevant files to the AP project in the project (located in the

Voice Library folder) shown as follows (XX represents the corresponding MCU type):

Voice Library Choice.asm,
XX Voicelib_call.c,

XX Voice Libl.asm

XX hed,
XX_Voicelib_call.h,

i+ Project: BHETF2472_AP (¥)
g MCU: BHE7F2472
1 Source Files
[-]6] BHETF2472 AP.c
[ IE] AP_Entry.c
.| €] Signature_Used.c

[ BHBTF2472 Voice_Lib1.asm
Woice_Library_Choice.asm
-[€] BHETF2472 Voicelib_call.c

1 Startup Code

: startup_l.asm

) OBJ Files

"] HeaderFiles

[K] AP_STARTUP_OPTION.h
-.|n] mytypedefh

..|n] regs_mapping.h

-.|n] BHBTF2472 Voicelib_callh

--{h] BHBTF2472.h

) External Files
E‘ build-in.h
BHETF2472.inc

5. Set the library start address in the HT-IDE3000, click Tools — Program Location manager. Take
the BH67F2472 as an example, the start address is 340H, the end address is 7fbfH

Program Location Manager

*

Type | ALL v Rom size: OH ~ 7ffH
File Start Address End Address 2
BHG7F2472_Voice_Lib1.asm 340H 7
BHETF2472_Voice_Library. lib 340H TofH
BHEF2472_Voicelib_call.c 340H ThfH
LIBHOLTEKGCC, LIB 340H ThhtH
Signature_lsed.c FhcOH TiH
startupl_|.asm 340H TbfH
w3_lmrmc.lib 340H ThhfH

| Voice_Library_Cheice.asm 340H 7hH | .

Reset Set

Cancel
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6. The Play voice interrupt is written in the XX Voicelib_call.c file, the grammar requires to be

changed as follows (Refer to “Holtek Emulated ISP User Guide” for grammar details), where the
definition of AP_Start Address are the same as that in AP STARTUP_OPTION.h. If there is no
interrupt in the library, this step can be omitted

145 SERRAE R AR AR A CR R AR HRE R AA R R AR N AR A LR A AR H AT N CERR

146 A/Function :Play woice interrupt

aur - SrInput:

48 // nvol:

189 s

158  |mdefine AP_SLart_nddress 0w 3n0

151 |#define Redirection_nddr AP_Start_fddress

152 attribute_ ((interrupt{@:18), reg_acc(@8xR5), isr_at({0x18+Redirection_fddr)))
153 |uoid playweice_funinterrupt{veid)

1545

155 asm("CLR WDT'");

156 asm{“CLR WDT2");

157 asm {“GALL _PLAY_UDICE_ISR“); //Timer 1 Intervupt Service Rowtine( voice Samplingheat Timer [5E)
158

S

7. Refer to the “Call Voice library Functions by C” section for other Voice library call considerations
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The information provided in this document has been produced with reasonable care and attention
before publication, however, HOLTEK does not guarantee that the information is completely
accurate. The information contained in this publication is provided for reference only and may
be superseded by updates. HOLTEK disclaims any expressed, implied or statutory warranties,
including but not limited to suitability for commercialization, satisfactory quality, specifications,
characteristics, functions, fithess for a particular purpose, and non-infringement of any third-
party’s rights. HOLTEK disclaims all liability arising from the information and its application. In
addition, HOLTEK does not recommend the use of HOLTEK’s products where there is a risk of
personal hazard due to malfunction or other reasons. HOLTEK hereby declares that it does not
authorise the use of these products in life-saving, life-sustaining or safety critical components. Any
use of HOLTEK’s products in life-saving/sustaining or safety applications is entirely at the buyer’s
risk, and the buyer agrees to defend, indemnify and hold HOLTEK harmless from any damages,
claims, suits, or expenses resulting from such use. The information provided in this document,
including but not limited to the content, data, examples, materials, graphs, and trademarks, is the
intellectual property of HOLTEK (and its licensors, where applicable) and is protected by copyright
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